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1. Introduction 
This paper proposes methodologies and formats for aligning and presenting evaluation results from different companies on VoIP and mobility performance.  
2. VoIP
The performance measure should be the VoIP capacity (users/MHz/sector), i.e. the maximum number of supported users for which the specified quality requirements are fulfilled. 

In present results, somewhat different assumptions have been made. A number of such parameters are listed in Table 1. Recommended baseline values are also included. The intention of these is to get a set of comparable results. Additional use of alternative values is not excluded.
Companies are further encouraged to report if bundling of VoIP frames has been used, and effective IoT.

Aggregation of results can be done in different ways, e.g. averaging, using a range, presenting all results. The preferred method to use depends on e.g. the number of results and how comparable these are. This decision should be taken once results are available. 
Table 1. VoIP parameters and recommended baseline values

	Parameter
	Range
	Baseline value

	Number of base station antennas 
	2-4
	4

	Scheduling
	Dynamic, Semi-persistent
	Both

	PDDCH limitation
	Included, excluded
	Included


3. Mobility

The ITU methodology is quite precise and has been followed by the two companies presenting results. The results are quite similar.
To get comparable median SINR results it is important to use similar power control and scheduling parameters. 
Table 1. Mobility parameters and recommended baseline values

	Parameter
	Baseline value

	Power control 
	Fractional ( = 0.8), P0 fitted to environment

	Scheduling bandwidth
	4-5 RB


4. Proposal

Companies providing VoIP and mobility evaluations should include the recommended parameters presented in this document.
