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***** Next change *****
Annex X (normative):
IP-Connectivity Access Network specific concepts when using GPRS (Iu mode only) to access IM CN subsystem 
***** Next change *****
X.1	Scope
The present annex defines IP-CAN specific requirements for a multimedia telephony communication service and associated supplementary services in the IP Multimedia (IM) Core Network (CN) subsystem, where the IP-CAN is General Packet Radio Service (GPRS).
***** Next change *****
X.2	GPRS aspects when connected to the IM CN subsystem
***** Next change *****
X.2.1	Procedures at the UE
***** Next change *****
X.2.1.1	Service specific access control
***** Next change *****
X.2.1.1.1	General
This clause specifies service specific access control in addition to procedures as specified in annex K of 3GPP TS 24.173 [xx].
***** Next change *****
X.2.1.1.2	Call pull specific procedures
When the UE decides to pull a call from another federated UE, if:
1)	only audio or only real-time text or only both audio and real-time text are offered in the call to be pulled and no other originating multimedia telephony communication session initiated with offering only audio or only real-time text or only both audio and real-time text exists, then the UE sends the MO-MMTEL-voice-started indication to the non-access stratum; or
2)	video is offered in the call to be pulled and no other originating multimedia telephony communication session initiated with offering video exists, then the UE sends the MO-MMTEL-video-started indication to the non-access stratum.
The non-access stratum provides the barring result. If the barring result is:
1)	"not-barred", the UE continues the call pull handling described in clause 4.5.3.1.2; or
2)	"barred", the UE rejects the call pull and stops the call pull handling described in clause 4.5.3.1.2.
When the pulled call ends (e.g., a response to a BYE or a failure response to the initial INVITE request is transferred, the call is transferred to a different UE), if:
1)	the UE sent the MO-MMTEL-voice-started indication upon initiation of the call pull and no other originating multimedia telephony communication session initiated with offering only audio or only real-time text or only both audio and real-time text exists, the UE sends the MO-MMTEL-voice-ended to the non-access stratum; or
2)	the UE sent the MO-MMTEL-video-started indication upon initiation of the call pull and no other originating multimedia telephony communication session initiated with offering video exists, the UE sends the MO-MMTEL-video-ended indication to the non-access stratum.
***** Next change *****
Annex Y (normative):
IP-Connectivity Access Network specific concepts when using EPS to access IM CN subsystem
[bookmark: _Toc20131319][bookmark: _Toc27486669][bookmark: _Toc75716294]***** Next change *****
Y.1	Scope
The present annex defines IP-CAN specific requirements for a multimedia telephony communication service and associated supplementary services in the IP Multimedia (IM) Core Network (CN) subsystem, where the IP-CAN is Evolved Packet System (EPS).
[bookmark: _Toc20131320][bookmark: _Toc27486670][bookmark: _Toc75716295]***** Next change *****
Y.2	EPS aspects when connected to the IM CN subsystem
***** Next change *****
Y.2.1	Procedures at the UE
***** Next change *****
Y.2.1.1	Service specific access control
***** Next change *****
Y.2.1.1.1	General
This clause specifies service specific access control in addition to procedures as specified in annex J of 3GPP TS 24.173 [xx].
***** Next change *****
Y.2.1.1.2	Call pull specific procedures
When the UE decides to pull a call from another federated UE, if:
1)	only audio or only real-time text or only both audio and real-time text are offered in the call to be pulled and no other originating multimedia telephony communication session initiated with offering only audio or only real-time text or only both audio and real-time text exists, then the UE sends the MO-MMTEL-voice-started indication to the non-access stratum; or
2)	video is offered in the call to be pulled and no other originating multimedia telephony communication session initiated with offering video exists, then the UE sends the MO-MMTEL-video-started indication to the non-access stratum.
The non-access stratum provides the barring result. If the barring result is:
1)	"not-barred", the UE continues the call pull handling described in clause 4.5.3.1.2; or
2)	"barred", the UE rejects the call pull and stops the call pull handling described in clause 4.5.3.1.2.
When the pulled call ends (e.g., a response to a BYE or a failure response to the initial INVITE request is transferred, the call is transferred to a different UE), if:
1)	the UE sent the MO-MMTEL-voice-started indication upon initiation of the call pull and no other originating multimedia telephony communication session initiated with offering only audio or only real-time text or only both audio and real-time text exists, the UE sends the MO-MMTEL-voice-ended to the non-access stratum; or
2)	the UE sent the MO-MMTEL-video-started indication upon initiation of the call pull and no other originating multimedia telephony communication session initiated with offering video exists, the UE sends the MO-MMTEL-video-ended indication to the non-access stratum.
***** Next change *****
Annex Z (normative):
IP-Connectivity Access Network specific concepts when using 5GS to access IM CN subsystem
***** Next change *****
Z.1	Scope
The present annex defines IP-CAN specific requirements for a multimedia telephony communication service and associated supplementary services in the IP Multimedia (IM) Core Network (CN) subsystem, where the IP-CAN is 5G System (5GS).
***** Next change *****
Z.2	5GS aspects when connected to the IM CN subsystem
***** Next change *****
Z.2.1	Procedures at the UE
***** Next change *****
Z.2.1.1	Service specific access control
***** Next change *****
Z.2.1.1.1	General
This clause specifies service specific access control in addition to procedures as specified in annex M of 3GPP TS 24.173 [xx].
***** Next change *****
Z.2.1.1.2	Call pull specific procedures
When the UE decides to pull a call from another federated UE, if:
1)	only audio or only real-time text or only both audio and real-time text are offered in the call to be pulled and no other originating multimedia telephony communication session initiated with offering only audio or only real-time text or only both audio and real-time text exists, then the UE sends the MO-MMTEL-voice-started indication to the non-access stratum; or
2)	video is offered in the call to be pulled and no other originating multimedia telephony communication session initiated with offering video exists, then the UE sends the MO-MMTEL-video-started indication to the non-access stratum.
The non-access stratum provides the barring result. If the barring result is:
1)	"not-barred", the UE continues the call pull handling described in clause 4.5.3.1.2; or
2)	"barred", the UE rejects the call pull and stops the call pull handling described in clause 4.5.3.1.2.
When the pulled call ends (e.g., a response to a BYE or a failure response to the initial INVITE request is transferred, the call is transferred to a different UE), if:
1)	the UE sent the MO-MMTEL-voice-started indication upon initiation of the call pull and no other originating multimedia telephony communication session initiated with offering only audio or only real-time text or only both audio and real-time text exists, the UE sends the MO-MMTEL-voice-ended to the non-access stratum; or
2)	the UE sent the MO-MMTEL-video-started indication upon initiation of the call pull and no other originating multimedia telephony communication session initiated with offering video exists, the UE sends the MO-MMTEL-video-ended indication to the non-access stratum.

