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1. Overall Description:

CN1 thanks SA2 for their LS on protocol aspects for CSI. CN1 would like to inform SA2 that they have agreed a Work Item for the stage 3 protocol work on CSI.

CN1 has briefly discussed the questions from SA2 however there was insufficient background information provided for CN1 to fully analyse the questions and provide definitive responses to all these questions. 

CN1 provides the following provisional responses to the questions:

· Is the SIP OPTIONS request and/or response able to carry (end-to-end between UEs) both an IMS Public User Identity in the form of an SIP URI and the MSISDN of the UE in the form of a TEL URI simultaneously?

· An OPTIONS request/response can contain multiple Contact headers, but currently there is no way to indicate whether a number is MSISDN or to be used with SIP. Also note that if the OPTIONS request is forked in the network the calling UE will receive only one response, i.e. it will get aware of the capabilities of only one of the UEs which received the OPTIONS request.

· If yes, how would a Rel-6 UE interpret a TEL URI in e.g. the contact header of an OPTIONS request and response?
· TEL URI indicates a point of contact, but doesn't state which protocol to use. Also, while Contact can be used in OPTIONS, it has no defined meaning, and the meaning could be different whether the OPTIONS is sent within or outside an existing dialog.

· Is the SIP INVITE request and/or response able to carry (end-to-end between UEs) both an IMS Public User Identity in the form of an SIP URI and the MSISDN of the UE in the form of a TEL URI simultaneously?

· No. An INVITE can only contain one Contact header, and that is used for SIP routing subsequent requests. 

· For optimisation reasons SA2 are considering whether it is possible to include an SDP body in an SIP OPTIONS request. If included, what type of behaviour can be expected from a UAS receiving such a request?

· An options request may contain a body, however the use of an SDP body with an options request is undefined. SIP must use the offer answer model with SDP as specified in RFC3264. It is hard to see how the semantics of OPTIONS fit with the semantics of offer answer especially since the response to an OPTIONS request is specified to contain SDP representing the full set of media capabilities if the Accept header contains an “Application/SDP” value.

· SA2 would like to understand the practicalities, process, and timeframe for defining new 3GPP-specific Caller Preference feature tags. SA2 would welcome CN1’s clarification on this matter. 

· CN1 has no experience from defining a Caller Preference feature tag, but assumes that if IANA registration is needed, this is possible within weeks. It should be considered whether such feature tag would require an IETF RFC to be defined, or if proprietary tag can be used. See RFC 2506 Media Feature Tag Registration Procedure

· SA2 would like to ask whether an implicit mechanism could be used to indicate whether a UE supports a specific service such as CS and IMS combinational services?

· Implicit indication may always cause problems (e.g. due to forking) and explicit indications are safer but have currently not been specified for the services mentioned above, whatever they may be.
CN1 would like to point out that it is impossible to give a tutorial on the mechanisms available to extend SIP in a single liaison statement, and would welcome requirements on which to base the protocol design rather than protocol proposals.

2. Actions:

CN1 asks SA2 to take the answers into account for their stage 2 level work, but also to supply CN1 with the background information and requirements necessary for CN1 to make appropriate protocol decisions to implement the stage 3 parts of CSI. 


3. Date of Next TSG-CN1 Meetings:




CT1 #38
25th – 29th of April 2005
Cancun, Mexico

CT1 #39
15th – 19th of August 2005
TBD
