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1. Introduction
The CR is proposing the role of ICS UE call termination
2. Reason for Change
This funtionality needs to be specified
3. Conclusions

4. Proposal

It is proposed to agree the following changes to 3GPP TS 24.292.
* * * First Change * * * *

8.2
ICS UE


* * * Second Change * * * *

8.2.1 General

This clause specifies the procedures for call termination, both where the ICS UE is terminating calls in the CS domain and where the ICS UE is terminating calls using the IM CN subsystem. Procedures are specified for the ICS UE and the various functional entities such as SCC AS and MSC server enhanced for ICS.  

Annex A.4 gives examples of signalling flows for call termination.
* * * Third Change * * * *
8.2.2 ICS UE using Gm

When the ICS UE receives a SIP INVITE request,

1) if the ICS UE is connected to an IP-CAN capable of supporting full duplex speech, the ICS UE shall support termination of calls suitable for ICS via Gm reference point as specified in 3GPP TS 24.229 [4]).
There are no ICS specific requirements for the terminating of calls that may be subject to ICS.

2) if the ICS UE is connected to an IP-CAN that is not capable of supporting full duplex speech and the ICS UE has simultaneous access to CS, the UE shall:

-
send a reliable 1xx provisional response towards the IM CN subsystems as specified in 3GPP TS 24.229[4]. The UE shall populate the 1xx provisional response as follows:

•
the SDP payload set according to draft-garcia-mmusic-sdp-cs- 01 [19],  proposing an audio stream over a circuit-switched bearer, and including an indication that the local preconditions for QoS as not met as specified in 3GPP TS 24.229[4].

-
send a CC SETUP message in accordance with 3GPP TS 24.008 [85]. The UE shall populate the CC SETUP message as follows:

•

the called party BCD number information element set to the PSI DN received in the SIP INVITE request

Editor’s Note: The header/body field in the SIP INVITE request which carries the PSI DN is FFS.

-
when the ICS UE receives a CC CONNECT Message from the CS network, if the UE has already received an indication from the origination side that related local preconditions for QoS as met on the originating side, send a 180 Ringing message and continue the call setup as specified in 3GPP TS 24.229[4].
* * * Fourth Change * * * *

8.2.3 ICS UE using I1

Editor's note: This subclause will describe the role of the ICS UE during call termination when using I1 reference point.

* * * Fifth Change * * * *

8.2.4
ICS UE using CS
ICS UE shall implement the call termination suitable for ICS via CS domain as specified in 3GPP TS 24.008 [8]. 
* * * End of Changes * * * *

