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1.	Background 
During the offline discussion in SA4#122 meeting, it was raised whether the current Annex A of TS 26.506 should be informative or normative. While the recent version of TS 26.506 is defining Annex A as informative, some argued it should be normative as it contains the descriptive text and architecture figures for the collaboration scenarios where the main normative body of the document is relying. In this proposal, it is analysed the dependency of main body with Annex A to figure out which one is appropriate. 

2.	Current structure of TS 26.506 v1.1.0
Here are the parts in the main body of TS 26.506 which are referring the Annex A context.

### Cross-reference #1 ###
[bookmark: _Toc120864997][bookmark: _Toc129936644]4.1	Overall architecture for Real-Time Media Communication (RTC)


[bookmark: _Hlk116507747]Figure 4.1-1: 5G-RTC General Architecture
Note:	Some of functions may not be required depending on the collaboration scenario. Description of collaboration scenario and its architecture variant are specified in Annex A.
### Cross-reference #2 ###
[bookmark: _Toc120865000][bookmark: _Toc129936647]4.2.2	Provisioning function
The provisioning function may enable an application provider to perform provisioning of the following functionalities:
-	QoS support provisioning for WebRTC sessions
-	Charging provisioning for WebRTC sessions
-	Collection of consumption and QoE metrics data provisioning related to WebRTC sessions
-	Offering ICE functionality provisioning such as STUN and TURN servers
-	Offering WebRTC signalling servers provisioning, potentially with interoperability to other signalling servers.
The provisioning function may not be relevant to all collaboration scenarios and some of the 5G support functionality may be offered without application provider provisioning. 

### Cross-reference #3 ###
[bookmark: _Toc120865011][bookmark: _Toc129936658]4.3.1	RTC-1: Provisioning interface
The RTC-1 interface allows the Application Provider to provision support for RTC sessions that are offered by it. The provisioning may cover the following aspects:
-	QoS support for WebRTC sessions
-	Charging provisioning for WebRTC sessions
-	Collection of consumption and QoE metrics data related to WebRTC sessions
-	Offering ICE functionality such as STUN and TURN servers
-	Offering WebRTC signalling servers, potentially with interoperability to other signalling servers
The provisioning interface is not relevant to all collaboration scenarios and some of the 5G support functionality may be offered without application provider provisioning.

### Cross-reference #4 ###
[bookmark: _Toc120865024][bookmark: _Toc129936672]5.1	General 
The RTC procedures that are defined in this clause are classified based on the collaboration scenarios that are described in Annex A. Depending on the scenario, only a subset of the functions that are defined in 4.2 may be be involved. 
In general, the 5G-RTC call flow may consist of the following procedures. Details per each collaboration scenario is specified in Annex B;	Comment by 이학주/통신표준연구팀(SR)/삼성전자: This should be clause 5.x and 5.ym not Annex B
-	Provisioning
-	Configuration
-	ICE candidates discovery
-	Session establishment
-	QoS request (either client-driven or WebRTC signalling function/server-driven)
-	WebRTC traffic delivery
-	QoS updates
-	Session termination 

With those above, it is observed that the main body of the current specification should be supplemented by the definition and descriptive text in Annex A. Therefore, the context of Annex A should be normative as well for to ensure the identical and predictable understanding.  

3.	Proposal
Considering the dependency of main part in the TS, it is proposed to make the current Annex A to be normative.
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