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Introduction
In the ATIAS PDOC [1], there are suggestions for receiving direction characterization tests for cases where a binaural renderer is active in the UE. The present document suggests to add baseline tests for cases with the rendering block deactivated.
Background
The IVAS codec enables conversational audio far beyond traditional mono. The receive tests in the ATIAS PDOC have so far focused on the new aspects such as immersive audio with binaural rendering. However, to anchor IVAS implementations in UE:s in terms of basic properties such as loudness and frequency response, it is suggested to add tests that use the EVS interop mode in mono, bypassing any rendering. In fact, these basic tests would be suitable for requirements, while testing with the rendering block activated is suitable for characterization purposes without imposing requirements, since the rendering is up to the UE manufacturer.
Suggestions
It is suggested to add to the ATIAS PDOC:
For each acoustical interface mode (handset, headset, hand-held handsfree, desktop handsfree, electrical interface), and for each of super-wideband and fullband:
Receive loudness rating: measurement for mono pass-through
The test procedure is according to corresponding parts of TS 26.132, except that the codec used is IVAS in EVS interoperable mode at the source coding bit-rate and sampling rate specified for EVS in TS 26.132 subclauses 5.2.1 and 5.2.2, for the corresponding audio bandwidth. The passthrough mode is used, such that only decoding and no further rendering is active.
The requirements are according to TS 26.131, for receive loudness rating.
Receive frequency/sensitivity characteristics: measurement for mono pass-through
The test procedure is according to corresponding parts of TS 26.132, except that the codec used is IVAS in EVS interoperable mode at the source coding bit-rate and sampling rate specified for EVS in TS 26.132 subclauses 5.2.1 and 5.2.2, for the corresponding audio bandwidth. The passthrough mode is used, such that only decoding and no further rendering is active.
The requirements are according to TS 26.131, for sensitivity/frequency characteristics.
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