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1	Introduction
Test case 6.2.23 is about a CT first-to-answer call with pre-established session at the terminating side. Currently the case uses the pre-established session to establish the call like for a private call. But as a first-to-answer call requires to indicate Priv-Answer-Mode as "Manual" to the UE, according to RFC 5373 it is not allowed to modify the pre-established session with a re-INVITE, but it needs to be replaced by a new on-demand-like session.
In detail the following references to TS 24.379 need to be considered:
1. MCPTT servers:
a) According to clause 11.1.1.4.1 3) the controlling function shall include in the SIP INVITE request a Priv-Answer-Mode header field with the value "Manual"
 the terminating participating function gets an INVITE with Priv-Answer-Mode header field.
b) According to clause 11.1.1.3.2 8) the terminating participating function shall perform the manual commencement procedures as specified in clause 6.3.2.2.6.1.
c) Clause 6.3.2.2.6.1 refers to clause 6.3.2.2.6.3 in case of pre-established session.
d) As the INVITE contains a Priv-Answer-Mode header field, according to clause 6.3.2.2.6.3 1b) the participating function shall perform clause 6.3.2.2.6.2 with a Replaces header field included in the INVITE being sent to the client (according to clause 6.3.2.2.6.3 1a.ii).
 The participating function does not send a re-INVITE using the dialog of the pre-established session but creates a new dialog.
2. MCPTT client
e) According to clause 11.1.1.2.2.2 the terminating client performs procedures as specified in clause 11.1.1.2.1.2 without any deviation as neither 1) nor 2) of clause 11.1.1.2.2.2 applies.
f) According to clause 11.1.1.2.1.2 10c) the client shall perform manual commencement procedures as specified in clause 6.2.3.2.1.
g) Clause 6.2.3.2.1 refers to clause 6.2.3.1.1 for the 200 OK to be generated by the UE and regarding the release the pre-established session due to the Replaces header field in the INVITE.

2	Conclusions
Conclusion 2-1:	The call setup creates an on-demand session but it uses the media descriptions as negotiated for the pre-established session.
Conclusion 2-2:	After the UE has sent the 200 OK there is no pre-established session anymore.

NOTE 2-2.1: 
As there is no reference to any procedure for release of the pre-established session in TS 24.379 clause 6.2.3.1.1, it is assumed that the client locally releases the pre-established session, i.e. without any signalling.

NOTE 2-2.2: 
As clause 6.2.3.1.1 shall be applied only when the UE sends the 200 OK, if the user does not take the call, the pre-establish session should be kept (but this is not part of any test case).
Conclusion 2-3:	When the user requests the release of the call the client performs the usual procedure for leaving an on-demand session by sending a SIP BYE request (TS 24.379 clause 6.2.4.1).

NOTE 2-3.1: 
TS 24.379 does not consider at all upon which criteria a client creates a pre-established session, but in this case the session release could be a criterion.

3	Issues with test case 6.2.23

Issue 3-1:	Test purpose (2) is not applicable anymore
Proposal 3-1:	TP (2) to be removed. A TP (3) may be added for session release, to check that the client sends a SIP BYE but not a SIP REFER.

Issue 3-2:	Parts of the conformance requirements are not applicable; other conformance requirements may need to be added.
Proposal 3-2:	Conformance requirements to be reviewed and corrected.

Issue 3-3:	Test sequence: 
There shall be no 'Connect' and the session release shall be a normal call release
Proposal 3-3:	Steps 2/3 to be removed; at step 4 procedure 5.3.10 for CO call release shall be used instead of procedure 5.3.13 (CT call release keeping the pre-established session).

Issue 3-4:	Specific message contents needs to be corrected/extended.
Proposal 3-4a:	Table 6.2.23.3.3-1: SIP INVITE:
- Replaces header field to be added, referring to the pre-established session
- Resource list to be removed (same as issue 2 in R5-214673)
Proposal 3-4b:	Table 6.2.23.3.3-2: SDP offer
- SDP offer shall contain the media description(s) as negotiated for the pre-established session (see issue 3-5), i.e. it shall contain the attributes for ICE too.
- The SDP offer shall use a different sess-id than used in the SDP answer for the pre-established session
Proposal 3-4c:	Table 6.2.23.3.3-4 (Resource list) to be removed
Proposal 3-4d:	Table 6.2.23.3.3-5: SIP 200 (OK):
As for test case 6.2.21 the SIP 200 (OK) shall have MCPTT info as per default message content (see R5-214673 issue 5)
Proposal 3-4e:	Table 6.2.23.3.3-6: SDP answer
SDP answer shall contain the media description(s) as negotiated for the pre-established session (see issue 3-5), i.e. it shall contain the attributes for ICE too and the values of port number(s) fmt(s) and the ICE candidates shall be as negotiated for the pre-established session.
Proposal 3-4f:	Table 6.2.23.3.3-8 (Connect) to be removed

Issue 3-5:	The test case specifies no media (floor) control to be used. This is reasonable for a first-to-answer call, but it means that the SDP offer (and answer) shall not contain any media description for media control.
NOTE: In case of using a pre-established session, the network can indicate in the Connect message that no floor control shall be used (Media Streams field of the Connect). But in the test case there is no pre-established session anymore and therefore there is no other way for the network side to indicate no floor control to be used than to leave out the media control from the SDP offer.
Proposal 3-5:	The SDP offer in Table 6.2.23.3.3-2 shall not contain media description for media control and consequently the SDP answer in Table 6.2.23.3.3-6 shall not contain it either.

