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1 Introduction

This document proposes several minor editorial corrections to TR25.892 “Feasibility Study for OFDM for UTRAN enhancement” ‎[1]. 
2 Proposed Corrections
2.1 Section A.1.1, Table 2
The reference in the last row of Table 2 should be changed to document 25.212 instead of 25.858.

-------------------------------START of the TEXT --------------------------------------

	Rate matching
	Performed to make the number of coding blocks compatible with the radio frame size. 
	Refer to Section 5.5.2 of [4]


-------------------------------END of the TEXT --------------------------------------

2.2 Section A.3.3, Table 5

The exact meaning of the given value of the MCS feedback delay parameter may not be completely clear.  For consistency across different performance evaluations, this quantity may be defined as shown below.
-------------------------------START of the TEXT --------------------------------------

	MCS feedback delay
	2 TTIs
	This implies that after a channel measurement is made, it requires two additional TTIs before it can be used at the Node B.  For example, a channel measurement made during TTI 1 would be transmitted to the Node B and processed during TTIs 2 and 3, and could be used to select the MCS level for TTI 4.


-------------------------------END of the TEXT --------------------------------------

2.3 Section A.3.4.1

In the definition of the HTTP traffic source, some additional details on the traffic modelling are required.  The TCP modelling described in reference ‎[2] should be utilized.  As is the case for the FTP traffic model, 76% of the HTTP packet calls should be specified to use an MTU of 1500 bytes, with the remaining 24% using an MTU of 576 bytes.  Finally, it should also be noted that 40 byte IP packet headers are included in these MTU sizes, so the useful data payloads actually become 1460 and 536 bytes, respectively.
The paragraph immediately before Table 6 should be modified to:
-------------------------------START of the TEXT --------------------------------------

HTTP/1.1 persistent mode transfer is used to download the objects, which are located at the same server and the objects are transferred serially over a single TCP connection as modelled in ‎[2]. The distributions of the parameters for the web browsing traffic model are described in Table 6. Based on observed packet size distributions, 76% of the HTTP packet calls should use an MTU of 1500 bytes, with the remaining 24% of the HTTP packet calls using an MTU of 576 bytes.  These two potential packet sizes also include a 40 byte IP packet header (thereby resulting in useful data payloads of 1460 and 536 bytes, respectively), and this header overhead for the appropriate number of packets must be added to the object data sizes calculated from the probabilistic distributions in Table 6.

-------------------------------END of the TEXT --------------------------------------

2.4 Section A.3.4.2
The last paragraph prior to Figure 18 refers to Section 0 for the description of the model of TCP connection. Since this Section does not exists, the reference should be changed to document ‎[2].
-------------------------------START of the TEXT --------------------------------------

The underlying transport protocol for FTP is TCP.  The model of TCP connection described in ‎[2] will be used to model the FTP traffic.  The packet trace of an FTP session is shown in Figure 18. 

-------------------------------END of the TEXT --------------------------------------

Again, it is useful to note that 40 byte IP packet headers are included in the given MTU sizes for the FTP traffic model.  The final paragraph in Section A.3.4.2 should include one additional sentence mentioning the IP packet header overhead.

-------------------------------START of the TEXT --------------------------------------

Based on the results on packet size distribution, 76% of the files are transferred using and MTU of 1500 bytes and 24% of the files are transferred using an MTU of 576 bytes. Note that these two packet sizes also include a 40 byte IP packet header (thereby resulting in useful data payloads of 1460 and 536 bytes, respectively) and this header overhead for the appropriate number of packets must be added to the file sizes calculated from the probabilistic distributions in Table 7. For each file transfer a new TCP connection is used whose initial congestion window size is 1 segment (i.e. MTU). 
-------------------------------END of the TEXT --------------------------------------

2.5 Section A.3.5.1

The equation of the average packet call throughput should be aligned to that proposed in ‎[2].  This change ensures that the throughput values for very small packet calls are not over-weighted relative to the throughput values for larger packet calls, when the average packet call throughput for a user is calculated.
-------------------------------START of the TEXT --------------------------------------

Average packet call throughput [kbps] for user i is defined as:
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-------------------------------END of the TEXT --------------------------------------
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