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Introduction

In the discussion on the call control issue between SIP and H.323, France Telecom is strongly in favour to have only one IP multimedia call control protocol for the UMTS R00. However instead of naming this IP multimedia protocol, France Telecom introduces here major requirements needed from a UMTS operator’s point of view. It seems that clear answers shall be given concerning those aspects before making any proposal.

Discussion

France Telecom, when considering this issue, has paid a particular attention to some UMTS-related issues, which shall be taken into account in the definition of UMTS IP multimedia call control:

· The call control protocol (evolved from H323 or SIP) should fit with a reasonable complexity of UMTS R00 terminals (memory, power, …).
· Specific efforts will be necessary to enhance the IP multimedia call control protocol for the respect of QoS control, as it is required by 3GPP TSG SA.
· The UMTS multimedia system including the call control protocol shall be scalable (IP addresses, …).
· AMR codecs, which are necessary for the radio efficiency, shall be considered.

· Interworking should be provided to enable the establishment of communications between UMTS R00 users and external H323 or SIP users. In particular the interworking between AMR and existing IP multimedia mandatory codecs (i.e. G711 for H323 ) shall be resolved.

· The choice of call control protocol for its introduction in Release 00 raises the question of delay and stability of standards (regarding UMTS needs). SIP or H323 may be selected as a call control protocol with significant work and involvement needed for the required evolution ; in this situation, it should be noted that Release 00 may be delayed by lack of mature solution in time.

· The responsibility of the developments of SIP or H323 (enhancements, modifications, …) for the UMTS purposes needs to be clearly identified.
Conclusion

Either SIP or H.323 can be selected as the basis for development of the UMTS IP multimedia call control. Actually, none of these protocols, in their current state, is suitable for UMTS ; both need obvious enhancements in order to fit with UMTS. 

Whatever the chosen protocol is, France Télécom strongly stress to take into account the above requirements in the definition of the necessary evolutions. In particular, the interworking with existing SIP and H.323 fixed terminals shall be defined. 

