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1 Introduction
Clause 5.3 of TR 26.923 describes media handling aspects of telepresence systems based on the standardization activities in ITU-T SG16, focusing on functional requirements and audio/video parameters. However, important background information to clarify the signaling and architectural framework underlying behind ITU-T’s telepresence system and how this related to the IETF CLUE protocol is missing. This document proposes a few updates to Clause 5.3 towards a more complete description of the ITU-T specifications on telepresence systems.
2 Proposed Updates to TR 26.923
5.3.2
Audio/Video Parameters

In [REF1] and [REF2], ITU-T SG16 defines signalling and architecture for telepresence enabled conferencing. The ITU-T recommendation in [REF1] describes signalling procedures related to point-to-point and multipoint call processes in H.245 [REF3] based telepresence systems, including registration, call session establishment, capability exchange and negotiation of media stream transport. The ITU-T recommendation in [REF 2] describes the telepresence system functions, devices and network elements for capturing, delivering, managing and rendering multiple high quality interactive audio and video signals in a telepresence conference. The CLUE framework is utilized as part of ITU-T’s signalling and architecture for telepresence enabled conferencing in order to signal information related to multiple media captures. As such, a H.323 telepresence session follows additional call signalling procedures to negotiate the use of CLUE signalling and to link CLUE information to H.245 capabilities.
In this context, ITU-T SG16 also defines in [29] the audio/video/environment endpoint parameters for telepresence systems applicable for both SIP/IMS [4]-[5] and H.323 [REF4] based systems, including those which are used in the media setup phase during capability negotiation, and [29] also gives the specific format definitions for these parameters. Collectively, these audio/video parameters and their associated values can be expected to provide a high quality telepresence experience and are relevant for 3GPP’s IMS-based telepresence services from a media handling point of view. Furthermore, guidance is provided in [29] on the need for signalling these parameters at session initiation and during a session.
As far as possible, the audio/video parameters defined in [29] have been aligned with those specified by the IETF CLUE Working Group. However, there are several additional parameters that have also been specified. The set of parameters defined by ITU-T SG16 in [29] that are relevant for 3GPP’s IMS-based telepresence services are documented below, and with also an indication their relationship to IETF CLUE. 
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