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1 Overview

A testing methodology for evaluating VoIP clients has been proposed in S4-050742. In this contribution we provide decoded speech samples when processed using the testing methology.  The speech codec used was AMR, the mode used was 12.2 kbps. The AMR decoder included a jitter buffer to smooth out the delay variations. Transport related impediments, i.e., packet drops and packet delays were introduced using the simulator in S4-050685. Since no delay profile for HSDPA/EUL is yet available from RAN, a example delay profile was used. This is acceptable because this contribution only attempts to show the validity of the testing methology proposed in S4-050742.
Appendex A: Speech samples
NCIM_test.dec.pcm: Decoded speech when there are no delays or errors.

NCIM_test.rx.dec.pcm: Decoded speech when transport related delays and errors are introduced.
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