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Annex A (normative):
ICS proforma for 3rd Generation User Equipment supporting IP multimedia call control based on SIP and SDP
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<Unchanged Contents Skipped>
A.4.5
Additional information

Table A.12: Additional information

	Item
	Additional information
	Ref.
	Status
	Release
	Mnemonic
	Support

	1
	Void
	
	
	
	
	

	2
	Void
	
	
	
	
	

	3
	Void
	
	
	
	
	

	4
	UE capable of being configured to initiate Dedicated PDP Context
	24.229 [10], 9.2.1
	o
	Rel-5
	
	

	5
	UE capable of being configured to initiate P-CSCF discovery via PCO
	24.229 [10], 9.2.1
	o
	Rel-5
	
	

	6
	Void
	
	
	
	
	

	7
	UE capable of being configured to initiate P-CSCF discovery via DHCPv6
	24.229 [10], 9.2.1
	o
	Rel-5
	
	

	8
	UE supports P-CSCF discovery via PCO
	24.229 [10], 9.2.1
	o
	Rel-5
	
	

	9
	Void
	
	
	
	
	

	10
	UE supports P-CSCF discovery via DHCPv6
	24.229 [10], 9.2.1
	o
	Rel-5
	
	

	11
	Void
	
	
	
	
	

	12
	UE capable of initiating a bidirectional voice session over IMS
	24.229 [10], 5.1.6
	o
	Rel-5
	
	

	13
	Void
	
	
	
	
	

	14
	Void
	
	
	
	
	

	15
	Void
	
	
	
	
	

	16
	UE Supports "IPv6 address with embedded IPv4 address" in PCO IE
	23.981 [18], 5.2.1
	o
	Rel-6
	
	

	17
	UE Supports IPv4 address in PCO IE
	23.981 [18], 5.2.1
	o
	Rel-6
	
	

	18
	Void
	
	
	
	
	

	19
	UE supports UI capable of  showing user notification for Message Waiting Indication
	24.173 [55], Annex F
	o
	Rel-7
	
	

	20
	Void
	
	
	
	
	

	21
	Void
	
	
	
	
	

	22
	Void
	
	
	
	
	

	23
	UE supports sending RTCP while call is put on hold
	26.114 [56], 7.3.1
	o
	Rel-7
	
	

	
	
	IR.92 [72], 3.2.4
	m
	
	
	

	24
	UE supports no reply timer setting
	24.604 [68], 4.9.1.4
	o
	Rel-8
	
	

	
	
	IR.92 [72], 2.3.8
	m
	a) 
	
	

	25
	UE supports sending DTMF events over RTP
	26.114 [56], Annex G
	o
	Rel-7
	
	

	
	
	IR.92 [72], 3.3
	m
	
	
	

	26
	UE supports IMS emergency services
	24.229 [10], 5.1.6
	o
	Rel-9
	
	

	27
	UE uses Geolocation header to provide its geographical location for emergency session setup
	24.229 [10], 4.7
	o
	Rel-9
	
	

	28
	UE supports P-CSCF discovery in home network while roaming
	24.229 [10], L.2.2.1
	o
	Rel-8
	
	

	29
	UE supports emergency speech call over 1xRTT
	C.S0005-E [74]
	
	
	
	

	30
	UE supports Session-ID
	24.229 [10], 4.10.1
	o
	Rel-9
	
	

	31
	UE supports end-to-access-edge media security using SDES
	24.229 [10], 4.2.B.2
	o
	Rel-9
	
	

	32
	UE indicates video media feature tag in REGISTER and INVITE request
	26.114 [56], 5.2.2
	o
	Rel-7
	
	

	
	
	IR.94 [75], 2.2
	m
	
	
	

	33
	UE supports Communication Hold during emergency call
	23.167 [76], 7.1.1
	o
	Rel-9
	
	

	34
	UE indicates g.3gpp.srvcc-alerting media feature tag in INVITE request or 180 (Ringing) response
	24.237 [77], 12.2.3B.1
	o
	Rel-10
	
	

	35
	UE use RTCP during the active two-way voice sessions
	26.114 [56], 7.3.1
	o
	Rel-7
	
	

	
	
	IR.92 [80] 3.2.4
	m
	v7.0 or later
	
	

	
	
	IR.92 [72] 3.2.4
	x
	v6.0 or earlier
	
	

	36
	UE indicates g.3gpp.ps2cs-srvcc-orig-pre-alerting media feature tag in INVITE request
	24.237 [77]

6A.2.2.2
	o
	Rel-12
	
	


A.4.6
Additional information for IPv4
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