Page 1




3GPP TSG-RAN WG5 Meeting #50 
(
 R5-110673
Taipei, Taiwan, 21-25 February 2011
	CR-Form-v9.7

	CHANGE REQUEST

	

	(

	34.229-1
	CR
	0295
	(

rev
	-
	(

Current version:
	9.3.0
	(


	

	For HELP on using this form look at the pop-up text over the (
 symbols. Comprehensive instructions on how to use this form can be found at http://www.3gpp.org/specs/CR.htm.

	


	Proposed change affects:
(

	UICC apps(

	
	ME
	
	Radio Access Network
	
	Core Network
	


	

	Title:
(

	Updating SMS related default messages and ISIM settings – 3 IMPU

	
	

	Source to WG:
(

	Research In Motion UK Limited

	Source to TSG:
(

	R5

	
	

	Work item code:
(

	TEI8_Test
	
	Date: (

	07/02/2011

	
	
	
	
	

	Category:
(

	F
	
	Release: (

	Rel-9

	
	Use one of the following categories:
F  (correction)
A  (corresponds to a correction in an earlier release)
B  (addition of feature), 
C  (functional modification of feature)
D  (editorial modification)

Detailed explanations of the above categories can
be found in 3GPP TR 21.900.
	Use one of the following releases:
R99
(Release 1999)
Rel-4
(Release 4)
Rel-5
(Release 5)
Rel-6
(Release 6)
Rel-7
(Release 7)
Rel-8
(Release 8)
Rel-9
(Release 9)
Rel-10
(Release 10)
Rel-11
(Release 11)
Rel-12
(Release 12)

	
	

	Reason for change:
(

	1. ISIM information is out of date and not aligned with the values used in CT6.
2. The SMS test cases and the reference implementation will be used by CT6 and they need to set the content of the related IMS message and  RP-DATA, SMS-SUBMIT and SMS-DELIVER to specific values.

	
	

	Summary of change:
(

	1. New reference added and ISIM settings have been updated to better align with the values used by CT6

2. SMS related default messages have been updated and added to align with the ISIM content and the new PIXIT parameters.

	
	

	Consequences if 
(

not approved:
	SMS test cases will fail conformant UEs.

	
	

	Clauses affected:
(

	2, A.7

	
	

	
	Y
	N
	
	

	Other specs
(

	
	X
	 Other core specifications
(

	

	affected:
	X
	
	 Test specifications
	34.229-1, 34.229-3

	
	
	X
	 O&M Specifications
	

	
	

	Other comments:
(

	


2
References

The following documents contain provisions which, through reference in this text, constitute provisions of the present document.

· References are either specific (identified by date of publication, edition number, version number, etc.) or non‑specific.

· For a specific reference, subsequent revisions do not apply.

· For a non-specific reference, the latest version applies. In the case of a reference to a 3GPP document (including a GSM document), a non-specific reference implicitly refers to the latest version of that document in the same Release as the present document.

-
For a Release 5 UE, references to 3GPP documents are to version 5.x.y, when available.

-
For a Release 6 UE, references to 3GPP documents are to version 6.x.y, when available.

-
For a Release 7 UE, references to 3GPP documents are to version 7.x.y, when available.

-
For a Release 8 UE, references to 3GPP documents are to version 8.x.y, when available.

-
For a Release 9 UE, references to 3GPP documents are to version 9.x.y, when available.

[1]
3GPP TR 21.905: "Vocabulary for 3GPP Specifications".

[2]
3GPP TS 34.123-1: "User Equipment (UE) conformance specification; Part 1: Protocol conformance specification".

[3]
3GPP TS 34.123-2: "User Equipment (UE) conformance specification; Part 2: Implementation Conformance Statement (ICS) proforma specification".

[4]
3GPP TS 34.123-3: "User Equipment (UE) conformance specification; Part 3: Abstract Test Suites (ATS)".

[5]
3GPP TS 34.229-2: "Internet Protocol (IP) multimedia call control protocol based on Session Initiation Protocol (SIP) and Session Description Protocol (SDP); User Equipment (UE) conformance specification; Part 2: Implementation Conformance Statement (ICS) proforma specification".

[6]
3GPP TS 34.229-3: "Internet Protocol (IP) multimedia call control protocol based on Session Initiation Protocol (SIP) and Session Description Protocol (SDP); User Equipment (UE) conformance specification; Part 3: Abstract Test Suites (ATS)".

[7]
ISO/IEC 9646-1: "Information technology - Open systems interconnection - Conformance testing methodology and framework - Part 1: General concepts".

[8]
ISO/IEC 9646-7: "Information technology - Open systems interconnection - Conformance testing methodology and framework - Part 7: Implementation Conformance Statements".

[9]
ETSI ETS 300 406: "Methods for testing and Specification (MTS); Protocol and profile conformance testing specifications; Standardization methodology".

[10]
3GPP TS 24.229: "IP Multimedia Call Control Protocol based on Session Initiation Protocol (SIP) and Session Description Protocol (SDP); Stage 3".

[11]
3GPP TS 26.234: " Transparent end-to-end Packet-switched Streaming Service (PSS); Protocols and codecs ".

[12]
3GPP TS 24.008: "Mobile Radio Interface Layer 3 specification; Core Network Protocols; Stage 3".

[13]
3GPP TS 33.102: "3GPPSecurity; Security architecture".

[14]
3GPP TS 33.203: "Access security for IP based services".

[15]
RFC 3261: "SIP: Session Initiation Protocol".

[16]
RFC 2617: "HTTP Authentication: Basic and Digest Access Authentication".

[17]
RFC 3310: "Hypertext Transfer Protocol (HTTP) Digest Authentication Using Authentication and Key Agreement (AKA)".

[18]
RFC 3455: "Private Header (P-Header) Extensions to the Session Initiation Protocol (SIP) for the 3rd-Generation Partnership Project (3GPP)"

[19]
RFC 3608: "Session Initiation Protocol (SIP) Extension Header Field for Service Route Discovery During Registration".

[20]
RFC 3327: "Session Initiation Protocol Extension Header Field for Registering Non-Adjacent Contacts".

[21]
RFC 3329: "Security Mechanism Agreement for the Session Initiation Protocol (SIP)".

[22]
RFC 3680: "A Session Initiation Protocol (SIP) Event Package for Registrations".

[23]
RFC 3315: "Dynamic Host Configuration Protocol for IPv6 (DHCPv6)".

[24]
RFC 3320: “Signaling Compression (SigComp)”

[25]
RFC 3485: “The Session Initiation Protocol (SIP) and Session Description Protocol (SDP) Static Dictionary for Signaling Compression (SigComp)”

[26]
RFC 3486: “Compressing the Session Initiation Protocol (SIP)”

[27]
RFC 4566: "SDP: Session Description Protocol".

[28]
RFC 2403: "The Use of HMAC-MD5-96 within ESP and AH".

[29]
RFC 2404: "The Use of HMAC-SHA-1-96 within ESP and AH".

[30]
RFC 3264: "An Offer/Answer Model with the Session Description Protocol (SDP)".

[31]
RFC 3312: "Integration of Resource Management and Session Initiation Protocol (SIP)".

[32]
3GPP TS 23.003: "Numbering, addressing and identification".

[33]
RFC 3262: "Registration of provisional responses in Session Initiation Protocol (SIP)".

[34]
RFC 3265: "Session Initiation Protocol (SIP) Specific Event Notification".

[35]
3GPP TR 23.981 “Universal Mobile Telecommunications System (UMTS); Interworking aspects and migration scenarios for IPv4-based IP Multimedia Subsystem (IMS) implementations”.

[36]
ETSI ES 201 873-1: "Methods for Testing and Specification (MTS); The Testing and Test Control Notation version 3; Part 1: TTCN-3 Core Language”.

[37]
ETSI ES 201 873-2: "Methods for Testing and Specification (MTS); The Testing and Test Control Notation version 3; Part 2: TTCN-3 Tabular Presentation Format (TFT)".

[38]
ETSI TR 201 873-3: "Methods for Testing and Specification (MTS); The Testing and Test Control Notation version 3; Part 3: TTCN-3 Graphical Presentation Format (GFT)".

[39]
3GPP TS 22.101: "Service aspects; Service principles".

[40]
3GPP TS 34.108: "Common test environments for User Equipment (UE); Conformance testing".

[41]
3GPP TS 23.060: "General Packet Radio Service (GPRS); Service description; Stage 2".

[42]
3GPP TS 27.060: "Packet domain; Mobile Station (MS) supporting Packet Switched services".

[43]
3GPP TS 29.061: "Interworking between the Public Land Mobile Network (PLMN) supporting packet based services and Packet Data Networks (PDN)".

[44]
3GPP TS 23.107: "Quality of Service (QoS) concept and architecture".

[45]
3GPP TS 29.207: "Policy control over Go interface".

[46]
3GPP TS 29.208: "End-to-end Quality of Service (QoS) signalling flows".

[47]
RFC 2373: "IP Version 6 Addressing Architecture".

[48]
RFC 3646: "DNS Configuration options for Dynamic Host Configuration Protocol for IPv6 (DHCPv6)".

[49]
RFC 2132: "DHCP Options and BOOTP Vendor Extensions "

[50]
RFC 3263: "Session Initiation Protocol (SIP): Locating SIP Servers".

[51]
RFC 3319: "Dynamic Host Configuration Protocol (DHCPv6) Options for Session Initiation Protocol (SIP) Servers".

[52]
RFC 1035: "Domain Names - Implementation And Specification".

[53]
RFC 3556: "Session Description Protocol (SDP) Bandwidth Modifiers for RTP Control Protocol (RTCP) Bandwidth".

[54]
RFC 2833: "RTP Payload for DTMF Digits, Telephony Tones and Telephony Signals".

[55]
RFC 2131: "Dynamic Host Configuration Protocol".

[56]
RFC 2782: "A DNS RR for specifying the location of services (DNS SRV)".

[57]
RFC 3361: "Dynamic Host Configuration Protocol (DHCP-for-IPv4) Option for Session Initiation Protocol (SIP) Servers".

[58]
3GPP TS 25.331: "Radio Resource Control (RRC) protocol specification".

[59]
3GPP TR 33.978: "Security aspects of early IP Multimedia Subsystem (IMS)".

[60]
RFC 3903: " Session Initiation Protocol (SIP) Extension for EventState Publication".

[61]
RFC 5627: "Obtaining and Using Globally Routable User Agent (UA) URIs (GRUU) in the Session Initiation Protocol (SIP)".

[62]
RFC 5628: "Reg Event Package Extension for GRUUs".

[63]
RFC 3840: "Indicating User Agent Capabilities in the Session Initiation Protocol (SIP)"

[64]
RFC 3841: "Caller Preferences for the Session Initiation Protocol (SIP)".

[65]
3GPP TS 24.173: "IMS Multimedia Telephony Communication Service and supplementary services; stage 3"

[66]
3GPP TS 26.114: "IP Multimedia Subsystem (IMS); Multimedia Telephony; Media handling and interaction".

[67]
RFC 4867: "RTP Payload Format and File Storage Format for the Adaptive Multi-Rate (AMR) and Adaptive Multi-Rate Wideband (AMR-WB) Audio Codecs".

[68]
draft-drage-sipping-service-identification-01 (July 2007): "A Session Initiation Protocol (SIP) Extension for the Identification  of Services".

[69]
RFC 2616: "Hypertext Transfer Protocol -- HTTP/1.1".

[70]
RFC 4825: "The Extensible Markup Language (XML) Configuration Access Protocol (XCAP)".

[71]
RFC 4745: "Common Policy: A Document Format for Expressing Privacy Preferences".

[72]
RFC 3515: "The Session Initiation Protocol (SIP) Refer Method".

[73]
RFC 4032: "Update to the Session Initiation Protocol (SIP) Preconditions Framework".

[74]
3GPP TS 24.423: "PSTN/ISDN simulation services; Extensible Markup Language (XML) Configuration Access Protocol (XCAP) over the Ut interface for Manipulating NGN PSTN/ISDN Simulation Services".

[75]
3GPP TS 24.407: "PSTN/ISDN simulation services; Originating Identification Presentation (OIP) and Originating Identification Restriction (OIR); Protocol specification".

[76]
3GPP TS 24.408: "PSTN/ISDN simulation services; Terminating Identification Presentation (TIP) and Terminating Identification Restriction (TIR); Protocol specification".

[77]
3GPP TS 24.404: "PSTN/ISDN simulation services: Communication Diversion (CDIV); Protocol specification".

[78]
3GPP TS 24.411: "PSTN/ISDN simulation services: Anonymous Communication Rejection (ACR) and Communication Barring (CB); Protocol specification".

[79]
3GPP TS 24.405: "PSTN/ISDN simulation services: Conference (CONF); Protocol specification".

[80]
3GPP TS 24.406: "PSTN/ISDN simulation services: Message Waiting Indication (MWI): Protocol specification".

[81]
3GPP TS 24.410: "PSTN/ISDN simulation services: Communication HOLD (HOLD); PSTN/ISDN simulation services".

[82]
3GPP TS 24.429: "PSTN/ISDN simulation services: Explicit Communication Transfer (ECT); Protocol specification".

[83]
RFC 4244: "An Extension to the Session Initiation Protocol (SIP) for Request History Information".

[84]
3GPP TS 24.147: "Conferencing using the IP Multimedia (IM) Core Network (CN) subsystem; Stage 3".

[85]
IETF RFC 4353: "A Framework for Conferencing with the Session Initiation Protocol (SIP)".

[86]
IETF RFC 4575: "A Session Initiation Protocol (SIP) Event Package for Conference State".

[87]
3GPP TS 24.247: "Messaging service using the IP Multimedia (IM) Core Network (CN) subsystem; Stage 3".

[88]
IETF RFC 3842: "A Message Summary and Message Waiting Indication Event Package for the Session Initiation Protocol (SIP)".

[89]
IETF RFC 3325: "Private Extensions to the Session Initiation Protocol (SIP) for Asserted Identity within Trusted Networks".

[90]
3GPP TS 24.341: "Support of SMS over IP networks; Stage 3".

[91]
IETF RFC 3428: "Session Initiation Protocol (SIP) Extension for Instant Messaging".

[92]
3GPP TS 24.011: "Point-to-Point (PP) Short Message Service (SMS) support on mobile radio interface".

[93]
3GPP TS 23.040: "Technical realization of the Short Message Service (SMS)".

[94]
3GPP TS 36.508: "Evolved Universal Terrestrial Radio Access (E-UTRA) and Evolved Universal Terrestrial Radio Access (E-UTRAN); Common Test Environments for User Equipment (UE) Conformance Testing".
[95]
3GPP TS 24.615: "Communication Waiting (CW) using IP Multimedia (IM)  Core Network (CN) subsystem".

[96]
IETF RFC 3581: "An Extension to the Session Initiation Protocol (SIP) for Symmetric Response Routing".

[97]
IETF RFC 5031: "A Uniform Resource Name (URN) for Emergency and Other Well-Known Services".

[98]
draft-ietf-sipcore-location-conveyance-02: "Location Conveyance for the Session Initiation Protocol".

[99]
IETF RFC 4119: "A Presence-based GEOPRIV Location Object Format".

[100]
draft-patel-ecrit-sos-parameter-08 (February 2010): "SOS Uniform Resource Identifier (URI) parameter for marking of Session Inintiation Protocol (SIP) requests related to emergency services".

[101]
3GPP TS 24.611: "Anonymous Communication Rejection (ACR)
and Communication Barring (CB) using IP Multimedia (IM) Core Network (CN) subsystem;  Protocol specification".

[102]
3GPP TS 24.607: "Originating Identification Presentation (OIP) and Originating Identification Restriction (OIR) using IP Multimedia (IM) Core Network (CN) subsystem; Protocol specification".

[103]
3GPP TS 24.608: "Terminating Identification Presentation (TIP) and Terminating Identification Restriction (TIR) using IP Multimedia (IM) Core Network (CN) subsystem; Protocol specification".

[104]
3GPP TS 24.629: "Explicit Communication Transfer (ECT) using IP Multimedia (IM) Core Network (CN) subsystem; Protocol specification".
[XX]
3GPP TS 31.121: "UICC-terminal interface; Universal Subscriber Identity Module (USIM) application test specification"
[TEXT SKIPPED]

A.7
Default messages for SMS

A.7.1
MESSAGE for MT SMS

	Header/param
	Cond
	Value/remark
	Rel
	Reference

	Request-Line
	
	
	
	RFC 3261 [15]

RFC 3428 [92]

	
Method
	
	MESSAGE
	
	

	
Request-URI
	
	UE’s registered contact address in SIP URI form, as provided in the Contact header of the REGISTER message
	
	

	
SIP-Version
	
	SIP/2.0
	
	

	Via
	
	
	
	RFC 3261 [15]

	
sent-protocol
	
	SIP/2.0/UDP 
	
	

	
sent-by
	
	px_pcscf:px_SSProtectedServerPort
	
	

	
via-branch

	
	value starting with ‘z9hG4bk’
	
	

	From
	
	
	
	RFC 3261 [15]

	
addr-spec
	
	a SIP URI of the SS
	
	

	
tag
	
	any value
	
	

	To
	
	
	
	RFC 3261 [15]

	
addr-spec
	
	SIP URI of the UE
	
	

	
tag

	
	not present
	
	

	Call-ID
	
	
	
	RFC 3261 [15]

	
callid
	
	a random text string generated by the SS
	
	

	CSeq
	
	    
	
	RFC 3261 [15]

	
value
	
	any value
	
	

	
method
	
	MESSAGE
	
	

	Max-Forwards
	
	
	
	RFC 3261 [15]

	
value
	
	non-zero value
	
	

	Accept-Contact
	
	
	
	RFC 3841 [64]

	      ac-value
	
	+g.3gpp.smsip;require;explicit
	
	

	Request-Disposition
	
	
	
	RFC 3841 [64]

	      fork-directive
	
	no-fork
	
	

	P-Asserted-Identity
	
	
	
	RFC 3325 [89]

	      addr-spec
	
	a SIP URI of the SS representing  IP-SM-GW
	
	

	P-Called-Party-ID
	
	
	
	RFC 3455 [18]

	       called-pty-id-spec
	
	UE’s registered contact address in SIP URI form, as provided in the Contact header of the REGISTER message
	
	

	Content-Type
	
	
	
	RFC 3261 [15]

	
media-type
	
	application/vnd.3gpp.sms
	
	

	Content-Length
	
	
	
	RFC 3261 [15]

	
value
	
	length of message-body
	
	

	Message-body
	
	RP-DATA message including a SMS-DELIVER TPDU equal to px_MT_SMS if px_MT_SMS_defined is set to ‘TRUE’
otherwise
- TP-MTI=’00’B 

- TP-MMS=’1’B (No more messages are waiting for the MS in this SC)
- TP-RP=any allowed value

- TP-OA=any allowed value

- TP-PID=any allowed value

- TP-DCS=any allowed value

- TP-SCTS=any allowed value

- TP-UDL=set according to length of TP-UD field

- TP-UD=a valid SMS generated by SS
	
	TS 24.011 [92]

TS 23.040 [93]


A.7.2
MESSAGE for delivery report

	Header/param
	Cond
	Value/remark
	Rel
	Reference

	Request-Line
	
	
	
	RFC 3261 [15]

RFC 3428 [92]

	
Method
	
	MESSAGE
	
	

	
Request-URI
	
	same URI as received in A.7.1
	
	

	
SIP-Version
	
	SIP/2.0
	
	

	Via
	
	
	
	RFC 3261 [15]

	
sent-protocol
	
	SIP/2.0/UDP 
	
	

	
sent-by
	
	not checked
	
	

	
via-branch

	
	value starting with ‘z9hG4bk’
	
	

	From
	
	
	
	RFC 3261 [15]

	
addr-spec
	
	a SIP URI of the SS representing the calling UE
	
	

	
tag
	
	any value
	
	

	To
	
	
	
	RFC 3261 [15]

	
addr-spec
	
	SIP URI of the SS
	
	

	
tag

	
	not present
	
	

	Call-ID
	
	
	
	RFC 3261 [15]

	
callid
	
	not checked
	
	

	CSeq
	
	    
	
	RFC 3261 [15]

	
value
	
	any value
	
	

	
method
	
	MESSAGE
	
	

	Max-Forwards
	
	
	
	RFC 3261 [15]

	
value
	
	non-zero value
	
	

	Content-Type
	
	
	
	RFC 3261 [15]

	
media-type
	
	application/vnd.3gpp.sms
	
	

	Content-Length
	
	
	
	RFC 3261 [15]

	
value
	
	length of message-body
	
	

	Message-body
	
	RP-ACK message with RP‑User Data including a SMS-DELIVER-REPORT TPDU

- TP-MTI=’00’B

- TP-PI=any allowed value
	
	TS 24.011 [92]


A.7.3
MESSAGE for MO SMS

	Header/param
	Cond
	Value/remark
	Rel
	Reference

	Request-Line
	
	
	
	RFC 3261 [15]

RFC 3428 [91]

	
Method
	
	MESSAGE
	
	

	
Request-URI
	
	px_psi_SMSC
	
	

	
SIP-Version
	
	SIP/2.0
	
	

	Via
	
	
	
	RFC 3261 [15]

	
sent-protocol
	
	SIP/2.0/UDP 
	
	

	
sent-by
	
	IP address or FQDN and protected server port of the UE
	
	

	
via-branch

	
	value starting with ‘z9hG4bk’
	
	

	From
	
	
	
	RFC 3261 [15]

	
addr-spec
	
	any SIP URI
	
	

	
tag
	
	any value
	
	

	To
	
	
	
	RFC 3261 [15]

	
addr-spec
	
	px_CalleeUri
	
	

	
tag

	
	not present
	
	

	Call-ID
	
	
	
	RFC 3261 [15]

	
callid
	
	must be present, value not checked
	
	

	CSeq
	
	
	
	RFC 3261 [15]

	
value
	
	any value
	
	

	
method
	
	MESSAGE
	
	

	Max-Forwards
	
	
	
	RFC 3261 [15]

	
value
	
	non-zero value
	
	

	P-Access-Network-Info
	
	
	
	RFC 3455 [18]

	
access-net-spec  
	
	access network technology and, if applicable, the cell ID  
	
	

	Route
	
	
	
	RFC 3261 [15]

	
route-param
	
	<sip:px_pcscf:px_SSProtectedServerPort;lr>, <sip:px_scscf;lr>
	
	

	Content-Type
	
	
	
	RFC 3261 [15]

	
media-type
	
	application/vnd.3gpp.sms
	
	

	Content-Length
	
	
	
	RFC 3261 [15]

	
Value
	
	length of message-body
	
	

	Message-body

	
	RP-DATA message with RP‑User Data set to SMS-SUBMIT type equal to px_MO_SMS if px_MO_SMS_defined is set to ‘TRUE’
 otherwise :

- TP-MTI=’01’B (SMS-SUBMIT)

- TP-RD=any allowed value

- TP-VPF=any allowed value

- TP-RP=any allowed value

- TP-MR=any allowed value 

- TP-DA=any allowed value

- TP-PID=any allowed value

- TP-DCS=any allowed value

- TP-UDL=set according to length of TP-UD field

- TP-UD=must be present and non-empty
	
	TS 24.011 [92]


A.7.4
Submission report for MO SMS

	Header/param
	Cond
	Value/remark
	Rel
	Reference

	Request-Line
	
	
	
	RFC 3261 [15]

RFC 3428 [91]

	
Method
	
	MESSAGE
	
	

	
Request-URI
	
	 UE's registered contact address in SIP URI form, as provided in the Contact header of the REGISTER messageSIP/2.0
	
	

	
SIP-Version
	
	MESSAGE
	
	

	Via
	
	
	
	RFC 3261 [15]

	
sent-protocol
	
	SIP/2.0/UDP 
	
	

	
sent-by
	
	not checked
	
	

	
via-branch

	
	value starting with ‘z9hG4bk’
	
	

	From
	
	
	
	RFC 3261 [15]

	
addr-spec
	
	a SIP URI of the SS
	
	

	
Tag
	
	any value
	
	

	To
	
	
	
	RFC 3261 [15]

	
addr-spec
	
	px_PublicUserIdentity
	
	

	
tag

	
	must not be present
	
	

	Call-ID
	
	
	
	RFC 3261 [15]

	
Callid
	
	any value
	
	

	In-Reply-to
	
	
	
	RFC 3261 [15]

	
callid
	
	any value
	
	

	Cseq
	
	
	
	RFC 3261 [15]

	
value
	
	any value
	
	

	
method
	
	MESSAGE
	
	

	Max-Forwards
	
	
	
	RFC 3261 [15]

	
Value
	
	non-zero value
	
	

	Request-Disposition
	
	
	
	RFC 3261 [15]

	
fork-directive
	
	Fork
	
	

	P-Called-Party-ID
	
	
	
	RFC 3455 [18]

	
value
	
	any value
	
	

	P-Asserted-Identity
	
	
	
	RFC 3325 [13]

	
value
	
	px_psi_SMSC
	
	

	Content-Type
	
	
	
	RFC 3261 [15]

	
media-type
	
	application/vnd.3gpp.sms
	
	

	Content-Length
	
	
	
	RFC 3261 [15]

	
Value
	
	length of message-body
	
	

	Message-body
	
	RP-ACK message with RP‑User Data inclouding SMS-SUBMIT-REPORT:


- TP-MTI=‘01’B (SMS-SUBMIT-REPORT)

- TP-PI=‘00000000’B

- TP-SCTS=set by the SS (encoded as specified in TS 23.040 clause 9.2.3.11)
	
	TS 24.011 [92]

TS 23.040 [93]


A.7.5
Status report for MO SMS

	Header/param
	Cond
	Value/remark
	Rel
	Reference

	Request-Line
	
	
	
	RFC 3261 [15]

RFC 3428 [91]

	
Method
	
	MESSAGE
	
	

	
Request-URI
	
	UE's registered contact address in SIP URI form, as provided in the Contact header of the REGISTER message
	
	

	
SIP-Version
	
	SIP/2.0
	
	

	Via
	
	
	
	RFC 3261 [15]

	
sent-protocol
	
	SIP/2.0/UDP 
	
	

	
sent-by
	
	not checked
	
	

	
via-branch

	
	value starting with ‘z9hG4bk’
	
	

	From
	
	
	
	RFC 3261 [15]

	
addr-spec
	
	a SIP URI of the SS 
	
	

	
Tag
	
	any value
	
	

	To
	
	
	
	RFC 3261 [15]

	
addr-spec
	
	px_PublicUserIdentity
	
	

	
tag

	
	must not be present
	
	

	Call-ID
	
	
	
	RFC 3261 [15]

	
Callid
	
	any value
	
	

	P-Asserted-Identity
	
	
	
	RFC 3325 [89]

	
addr-spec
	
	px_psi_SMSC
	
	

	Cseq
	
	
	
	RFC 3261 [15]

	
Value
	
	any value
	
	

	
method
	
	MESSAGE
	
	

	Max-Forwards
	
	
	
	RFC 3261 [15]

	
Value
	
	non-zero value
	
	

	Request-Disposition
	
	
	
	RFC 3261 [15]

	
fork-directive
	
	no-fork
	
	

	Accept-Contact
	
	
	
	RFC 3841 [64]

	
ac-value
	
	+g.3gpp.smsip;require;explicit
	
	

	Content-Type
	
	
	
	RFC 3261 [15]

	
media-type
	
	application/vnd.3gpp.sms
	
	

	Content-Length
	
	
	
	RFC 3261 [15]

	
Value
	
	length of message-body
	
	

	Message-body
	
	RP-DATA message with RP‑User Data including SMS-STATUS-REPORT:

- TP-MTI=’10’B (SMS-STATUS-REPORT)

- TP-MMS=’0’B

- TP-SRQ=’0’B

- TP-MR=same value as that set by the UE in the RP-DATA of the MO SMS

- TP-RA=same value as the TP-DA set by the UE in the RP-DATA of the MO SMS

- TP-SCTS=same value as that set by the SS in the RP-ACK acknowledging the MO SMS

- TP-DT=set by the SS (encoded as specified in TS 23.040 clause 9.2.3.11)

- TP-ST=’0000000’B (Short message received by the SME)
	
	TS 24.011 [92]


A.7.6
Delivery report for MO SMS

	Header/param
	Cond
	Value/remark
	Rel
	Reference

	Request-Line
	
	
	
	RFC 3261 [15]

RFC 3428 [92]

	
Method
	
	MESSAGE
	
	

	
Request-URI
	
	same URI as received in A.7.5
	
	

	
SIP-Version
	
	SIP/2.0
	
	

	Via
	
	
	
	RFC 3261 [15]

	
sent-protocol
	
	SIP/2.0/UDP 
	
	

	
sent-by
	
	not checked
	
	

	
via-branch

	
	value starting with ‘z9hG4bk’
	
	

	From
	
	
	
	RFC 3261 [15]

	
addr-spec
	
	a SIP URI of the SS representing the calling UE
	
	

	
tag
	
	any value
	
	

	To
	
	
	
	RFC 3261 [15]

	
addr-spec
	
	SIP URI of SS
	
	

	
tag

	
	not present
	
	

	Call-ID
	
	
	
	RFC 3261 [15]

	
callid
	
	not checked
	
	

	CSeq
	
	    
	
	RFC 3261 [15]

	
value
	
	any value
	
	

	
method
	
	MESSAGE
	
	

	Max-Forwards
	
	
	
	RFC 3261 [15]

	
value
	
	non-zero value
	
	

	Content-Type
	
	
	
	RFC 3261 [15]

	
media-type
	
	application/vnd.3gpp.sms
	
	

	Content-Length
	
	
	
	RFC 3261 [15]

	
value
	
	length of message-body
	
	

	Message-body
	
	RP-ACK message with RP‑User Data including a SMS-DELIVER-REPORT TPDU:

- TP-MTI=’00’B (SMS-DELIVER-REPORT)

- TP-PI=any allowed value 
	
	TS 24.011 [92]


A.7.7 RP-DATA message (UE to Network)
	Information element
	Value/Remark

	RP‑Message Type
	‘000’B

	RP‑Message Reference
	Any valid value

	RP‑Originator Address
	0 length address

	RP‑Destination Address
	px_SMSC_addr

	RP‑User Data
	Any valid value


[TEXT SKIPPED]
Annex E (normative):
Test ISIM Parameters

E.1
Introduction

This annex defines the default parameters to be programmed into the elementary files of the ISIM application.

Access conditions, data items and coding for the EFs for IMS session are defined in clause 4 of 3GPP TS 31.103 [31.103].

The parameters to be programmed into the elementary files for the USIM application are defined in clause 8.3 of 3GPP TS 34.108 [34.108].

E.2
Definitions

"Test ISIM card":

A ISIM card supporting the test algorithm for authentication defined in clause 8.1.2 of [34.108], programmed with the parameters defined in this annex and clause 8 of 3GPP TS 34.108 [34.108].

E.3
Default settings for the Elementary Files (EFs)

The format and coding of elementary files of the ISIM are defined in 3GPP TS 31.101 [31.101] and 3GPP TS 31.103 [31.103].

This annex defines the default parameters to be programmed into each elementary file of the ISIM.

If EFs have an unassigned value, it may not be clear from the main text what this value should be. This annex suggests values in these cases.

E.3.1
Contents of the EFs at the MF level

The.contents of the EFs at the MF level is defined in clause 8.3.1 in 3GPP TS 34.108 [34.108].

E.3.2
Contents of files at the ISIM ADF (Application DF) level

E.3.2.1
EFIMPI (IMS private user identity)

As defined in TS 31.121 [XX].

E.3.2.2
EFDOMAIN (Home Network Domain Name)

As defined in TS 31.121 [XX].

E.3.2.3
EFIMPU (IMS public user identity)

As defined in TS 31.121 [XX].

E.3.2.4
EFAD (Administrative Data)

This EF is programmed as defined in clause 8.3.2.18 in 3GPP TS 34.108 [34.108].

E.3.2.5
EFARR (Access Rule Reference)

The programming of this EF is a test house option.

E.3.2.6
EFIST (ISIM Service Table)
As defined in TS 31.121 [XX].

E.3.2.7
EFP-CSCF (P-CSCF Address)

As defined in TS 31.121 [XX]
.

E.3.2.8
EFGBABP (GBA Bootstrapping parameters)

The programming of this EF is a test house option.

E.3.2.9
EFGBANL (GBA NAF List)

The programming of this EF is a test house option.
E.3.2.10
EFNAFKCA (NAF Key Centre Address)
The programming of this EF is a test house option.
E.3.2.11
EFSMS (Short messages)
As defined in TS 31.121 [XX].
E.3.2.12
EFSMSS (SMS status)
As defined in TS 31.121 [XX].
E.3.2.13
EFSMSR (Short message status reports)
As defined in TS 31.121 [XX].
E.3.2.14
EFSMSP (Short message service parameters)
As defined in TS 31.121 [XX].
E.3.2.15
EFPSISMSC (Public Service Identity of the SM-SC)
As defined in TS 31.121 [XX].
�PAGE \# "'Page: '#'�'"  �� � HYPERLINK "http://www.3gpp.org/ftp/Information/DocNum_FTP_structure_V3.zip" ��Document numbers� are allocated by the Working Group Secretary.   Use the format of document number specified by the � HYPERLINK "http://www.3gpp.org/About/WP.htm" ��3GPP Working Procedures�.


�PAGE \# "'Page: '#'�'"  �� � HYPERLINK "http://www.3gpp.org/ftp/Information/DocNum_FTP_structure_V3.zip" ��Document numbers� are allocated by the Working Group Secretary.   Use the format of document number specified by the � HYPERLINK "http://www.3gpp.org/About/WP.htm" ��3GPP Working Procedures�.


�PAGE \# "'Page: '#'�'"  �� Enter the specification number in this box. For example, 04.08 or 31.102. Do not prefix the number with anything . i.e. do not use "TS", "GSM" or "3GPP" etc.


�PAGE \# "'Page: '#'�'"  �� Enter the CR number here. This number is allocated by the 3GPP support team.  It consists of at least four digits, padded with leading zeros if necessary.


�PAGE \# "'Page: '#'�'"  �� Enter the revision number of the CR here. If it is the first version, use a "-".


�PAGE \# "'Page: '#'�'"  �� Enter the version of the specification here. This number is the version of the specification to which the CR was written and (normally) to which it will be applied if it is approved. Make sure that the latest version of the specification (of the relevant release) is used when creating the CR. If unsure what the latest version is, go to � HYPERLINK "http://www.3gpp.org/3G_Specs/3G_Specs.htm" ��� � HYPERLINK "http://www.3gpp.org/specs/specs.htm" ��http://www.3gpp.org/specs/specs.htm�.


�PAGE \# "'Page: '#'�'"  �� For help on how to fill out a field, place the mouse pointer over the special symbol closest to the field in question.


�PAGE \# "'Page: '#'�'"  �� Mark one or more of the boxes with an X.


�PAGE \# "'Page: '#'�'"  �� SIM / USIM / ISIM applications.


�PAGE \# "'Page: '#'�'"  �� Enter a concise description of the subject matter of the CR. It should be no longer than one line, but if this is not possible, do not enter hard new-line characters.  Do not use redundant information such as "Change Request number xxx to 3GPP TS xx.xxx".


One or more organizations (3GPP Individual Members) which drafted the CR and are presenting it to the Working Group.


For CRs agreed at Working Group level, the identity of the WG.  Use the format "xn" where �	x = "C" for TSG CT, "R" for TSG RAN, "S" for TSG SA, "G" for TSG GERAN; �PAGE \# "'Page: '#'�'"  ���	n = digit identifying the Working Group; for CRs drafted during the TSG meeting itself, use "P". �Examples: "C4", "R5", "G3new", "SP".


�PAGE \# "'Page: '#'�'"  �� Enter the acronym for the work item which is applicable to the change. This field is mandatory for category F, A, B & C CRs for Release 4 and later. A list of work item acronyms can be found in the 3GPP work plan. See �� HYPERLINK "http://www.3gpp.org/ftp/Specs/html-info/WI-List.htm" ��http://www.3gpp.org/ftp/Specs/html-info/WI-List.htm� .


�PAGE \# "'Page: '#'�'"  �� Enter the date on which the CR was last revised.  Format to be interpretable by English version of MS Windows ® applications, e.g. 19/02/2006.


�PAGE \# "'Page: '#'�'"  �� Enter a single letter corresponding to the most appropriate category listed. For more detailed help on interpreting these categories, see Technical Report �HYPERLINK "http://www.3gpp.org/ftp/Specs/html-info/21900.htm"��21.900� "TSG working methods".


�PAGE \# "'Page: '#'�'"  �� Enter a single release code from the list below.


�PAGE \# "'Page: '#'�'"  �� Enter text which explains why the change is necessary.


�PAGE \# "'Page: '#'�'"  �� Enter text which describes the most important components of the change. i.e. How the change is made.


�PAGE \# "'Page: '#'�'"  �� Enter here the consequences if this CR were to be rejected. It is mandatory to complete this section only if the CR is of category "F" (i.e. correction), though it may well be useful for other categories.


�PAGE \# "'Page: '#'�'"  �� Enter the number of each clause which contains changes.   Be as specific as possible (ie list each subclause, not just the umbrella clause).


�PAGE \# "'Page: '#'�'"  �� Tick "yes" box if any other specifications are affected by this change.  Else tick "no".  You MUST fill in one or the other.


�PAGE \# "'Page: '#'�'"  �� List here the specifications which are affected or the CRs which are linked.


�PAGE \# "'Page: '#'�'"  �� Enter any other information which may be needed by the group being requested to approve the CR. This could include special conditions for it's approval which are not listed anywhere else above.





