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Attachments:
S4-151542 CR 26.114-0355 rev 2 Introduction of Multistream Multiparty Conference Media Handling (Release 13)
1. Overall Description:

SA4 would like to inform CT1, CT3 and CT4 that an extension is being added to MTSI for Multi-stream Multiparty Conferencing Media Handling (MMCMH). The attached CR describes the proposed updates to TS 26.114 in order to add this extension.

SA4 would request CT1, CT3 and CT4 to assess the impacts on their specifications, in particular to TS 24.229 and TS 24.147.
SA4 would like to draw CT1’s attention to the fact that the MMCMH extension uses simulcast [https://www.ietf.org/id/draft-ietf-mmusic-sdp-simulcast-03.txt] to send multiple encoded versions of the same source, for example both the main video and the thumbnail video in a multi-party conference call, see attached CR. This can be used to avoid transcoding in the conference server, which increases the quality and reduces the end-to-end delay. In addition, this reduces the computational load on the conferencing server. However, TS 24.229 Clauses 6.1.2 and 6.1.3 specify that only a single codec shall be negotiated for each media line. SA4 understands that a single codec per media line is preferable for traditional telephony services. However, more advanced communication services like multi-stream conferencing and telepresence could benefit from allowing multiple codecs, even for the same media line. SA4 would therefore like CT1 to consider if it is possible to relax the requirements in TS 24.229 Clauses 6.1.2 and 6.1.3 on only negotiating a single codec per media line, at least for advanced communication services.
SA4 would furthermore like to draw CT1’s attention to Annex S.4, which includes the following:
· Annex S.4.1 describes how MSMTSI (Multi-Stream MTSI) clients use information signalled in the SIP conference events in the interaction with the user.

· Annex S.4.2 describes that MSMTSI MRFs are capable of handling SIP conference events.

· Annex S.4.2 furthermore describes that an MSMTSI MRF sets the “isFocus” tag in the SIP header.

SA4 understands that the SIP signalling is defined in CT1 specifications, e.g. in TS 24.147 for conferencing. However, the purpose with these sub-clauses is mainly to clarify how these features are used by MSMTSI clients and MRFs and to provide references to CT1 specifications for these items. SA4 would therefore like to know if CT1 see any issues with including these sub-clauses in the SA4 specification.
2. Actions:

To CT1 group.

ACTION: 
SA4 asks CT1 to consider whether it is possible to relax the requirement in TS 24.229 that limits the negotiation to select only one single codec for each media line.

ACTION: 
SA4 asks CT1 to inform SA4 if there are any issues with including Annex S.4 in the SA4 specification.

To CT1, CT3 and CT4 groups.

ACTION: 
SA4 asks CT1, CT3 and CT4 to review the attached draft CR and assess the impacts on their specifications. 
3. Date of Next TSG-SA4 Meetings:
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