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1. Introduction

As discussion in C4-061571, CT4#33 in Fairfax, the intra-MSC handover/relocation should consider both intra-MGW and inter-MGW procedures respectively. The paper describes the UMTS to UMTS Intra-MSC SRNS/SBSS intra-MGW Relocation procedure within the SIP-I based CS core network.
2. Discussion

The Intra-MSC SRNS/SBSS Intra-MGW Relocation flow example is reused in the SIP-I based CS network except for the procedure reference in the interface between MSC-S with MGW.
3. Proposal

It is proposed to update the following text into the draft TR 29.802 v0.3.0.
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Handover/Relocation

Editor's Note:
Changes to this Clause need to be agreed within CT4.

NOTE:
All message sequence charts in this clause are examples. All valid handover/relocation message sequences can be derived from the example message sequences and associated message pre-conditions.

10.1
UMTS to UMTS


In the context of the following clauses, the terms RNS or RNC refer also to a GERAN BSS or BSC (respectively) when serving an UE in Iu mode.

10.1.1
Intra-MSC SRNS/SBSS Relocation


The procedures specified in 3GPP TS 23.009 [xx] for "Intra-3G_MSC SRNS Relocation" shall be followed. The following clauses describe the additional requirements for the bearer independent CS core network.

10.1.1.1
Intra-MGW Relocation

The handling of Intra-MSC Intra-MGW SRNS/SBSS Relocation is as defined in the clause 8.1.1 of 3GPP TS 23.205 [2].
10.1.1.2
Inter-MGW Relocation

Editor's note: The section is to define the UMTS to UMTS Intra-MSC SRNS/SBSS Inter-MGW Relocation handover/relocation flow examples.
























































































































































































































