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Abstract

ITU-T Rec. Q.1912.5 lists 100rel (RFC 3262) as optional for profile C (SIP-I).  Because of the advantages of 100rel procedures we propose to make support for 100rel mandatory in the profile but to allow interoperation with systems that do not implement this SIP extension.
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5.2.1.1
Support for 100rel


SIP-I based Nc shall support 100rel (IETF RFC 3262 [xx]), which is optional in Profile C of ITU-T Rec. Q.1912.5 [16].  To allow interoperation with endpoints conforming to Profile C of ITU-T Rec. Q.1912.5 [16], SIP-I based Nc over SCTP transport shall also interoperate with endpoints that do not support 100rel or require 100rel in provisional responses.  Reliable SCTP transport allows the reliable transmission of encapsulated ISUP messages in unreliable SIP provisional responses. 















































































































