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1 Introduction

The paper describes the basic mobile originating call procedure within the SIP-I based CS core network.
2 Proposal
It is proposed to update the following text into the draft TR 29.802 v0.1.0.

8
Call Establishment

Editor's note: The section is to define the call establishment flow examples.
8.1
Basic Mobile Originating Call

Editor's note: The section is to define the mobile originating call establishment flow examples.
8.2
Basic Mobile Terminating Call

8.2.1
Basic Mobile Terminating Call

The basic mobile terminating call shall be established in accordance with 3GPP TS 23.108 [18]. The following clauses describe the additional requirements for the bearer independent CS core network. The Offer/Answer Model with the Session Description Protocol (SDP) shall be applied for SDP exchange and media negotiation with IETF RFC 3264 [27].

8.2.1.1
GMSC server
The GMSC server may select a MGW for the bearer connection before it performs the incoming side bearer establishment or the outgoing side bearer establishment. The GMSC server may not select a MGW to only process the call signalling if there is no need for the GMSC server to manipulate the bearer. This clause will describe the GMSC behaviour in the two cases that MGW does not select MGW and selects a MGW separately.

8.2.1.1.1
GMSC does not select MGW
The GMSC server may not select MGW if there is no need for the GMSC server to manipulate the bearer. In this case the GMSC server may perform call control signalling without any associated MGW and the media session will bypass the control of the GMSC.

The GMSC server follows the Proxy or B2BUA behaviour as specified in IETF RFC 3261 [xx].

8.2.1.1.1.1
Initial INVITE message

The GMSC should pass the SDP received from preceding node in the INVITE message to the succeeding node transparently.
NOTE:
As an implementation option, if there is need for the GMSC server to modify the SDP received from preceding node in the INVITE message before passing it to the succeeding node, the GMSC server may perform the modification.

8.2.1.1.1.2
Failure handling in GMSC server

Editor's note: The section is to define the failure handling in GMSC server.
8.2.1.1.2
GMSC selects a MGW
Editor's note: The section is to define the failure handling in GMSC server.
8.2.1.2
MSC server

Editor's note: The section is to define the MSC behaviour of the MSC server for the basic mobile terminating call establishment.
8.2.2
Terminating Call Establishment for Iu Interface on IP

Editor's note: The section is to define the Terminating Call Establishment for Iu Interface on IP and call establishment flow examples.











































































































































































































































































































































































































































































































































































































































































































































































































































