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7.3
MSC Server enhanced for ICS

The MSC server enhanced for ICS shall implement call origination towards the SCC AS as specified in 3GPP TS 29.292 [24] with the following addition:

-
the Contact header of the SIP INVITE request shall include the g.3gpp.ics media feature tag set to "server";

-
include the P-Access-Network-Info header field in the SIP INVITE request as specified in 3GPP TS 24.229 [11]. The P-Access-Network-Info header field shall contain:

a)
an access-type field set to "3GPP-GERAN", "3GPP-UTRAN-FDD", "3GPP-UTRAN-TDD", or an access-class field set to"3GPP-GERAN", "3GPP-UTRAN;

b)
a "cgi-3gpp" or "utran-sai-3gpp" parameter;

c)
if available a "local-time-zone" parameter;

d)
a "network-provided" parameter; and

e)
if available, a "daylight-saving-time" parameter;
-
if:

a)
the UE is roaming;

b)
the MSC server is not in the home network; and

c)
an agreement exists with the home network operator (as identified by the bottom most URI in the list of URIs received in the Service-Route header field during the last successful registration or re-registration) to support Roaming Architecture for Voice over IMS with Local Breakout;


the MSC server may insert in the Feature-Caps header field, specified in IETF RFC 6809 [48], of the SIP INVITE request the "+g.3gpp.trf" header field parameter with the parameter value set to the URI of the desired TRF; and
-
if:

a)
the UE is roaming;

b)
the MSC server is not in the home network; and

c)
an agreement exists with the home network operator (as identified by the bottom most URI in the list of URIs received in the Service-Route header field during the last successful registration or re-registration) to provide access to MRF resources from the visited network;


the MSC server may insert in the Feature-Caps header field, specified in IETF RFC 6809 [48], of the SIP INVITE request the "+g.3gpp.mrb" header field parameter with the parameter value set to the URI of the desired MRB; and


the MSC server may insert in the Route header field, the parameter value set to the ATCF SIP URI as received in the Record-Route header field according to 3GPP TS 24.237 [X1] subclause 12.7.2.2.
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