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1. Introduction
It is proposed to agree the following changes to 3GPP TS 24.237 1.0.0.
* * * First Change * * * *
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* * * Next Change * * * *

4.2
Underlying network capabilities


SC assumes the use of a number of underlying network capabilities:

1)
provision by the home network operator of SCC AS on the IM CN subsystem, as specified in 3GPP TS 24.229 [2];

2)
if ICS is used, the network capabilities as specified in 3GPP TS 24.292 [4];
4.3
URI and address assignments


In order to support SC to a subscriber, the following URI and address assignments are assumed:

a)
in this version of the document, the SC UE will be configured with both a static STI and a static STN. The static STI and the static STN are equivalent to the VDI and the VDN specified in 3GPP TS24.206 [x], respectively. The static STI is used by the SC UE to perform CS to PS session transfer when no dynamically assigned STI is provided to the UE over the CS access (e.g. when the SC UE does not support ICS capabilities). The static STN is used by the SC UE to perform PS to CS session transfer when no service control signalling path as specified in 3GPP TS 24.292 [4] is available. 
b)
the SC UE will be configured to be reachable in both the IM CN subsystem and the CS domain by one to many public telecommunication numbers which should be correlated between the CS domain and IM CN subsystem. This public telecommunication number can be the DN (e.g. MSISDN) used in the CS domain and (in international form) comprise part of the implicit registration set associated with that SC UE in the IM CN subsystem, or the SCC AS can be configured to provide a functional relationship between separate numbers providing each of these identities;

NOTE:
One way of correlating the public telecommunication numbers of the CS domain and the IM CN subsystem is, to set them to the same values.
