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1. Introduction
Based upon the requirements of 3GPP2 MMD Supplementary services SIP based user configuration and the agreements of the 3GPP-3GPP2 Common IMS workshop in January 2008, text is proposed for the syntax requirements and signalling requirements for SIP based user configuration.
2. Reason for Change
The proposed changes are part of the transfer of 3GPP2 MMD requirements to 3GPP under the Common IMS agreement. These changes form part of the spec for SIP based user configuration as an alternative to the Ut interface. 
3. Proposal

It is proposed to agree the following changes to 3GPP TS 24.238.
* * * First Change * * * *

4.2
Syntax requirements
The precise digit sequences within the Request-URI that comprise the effective dialstrings for user configuration are defined by the IM CN subsystem service provider and are not subject to standardisation.
Editor’s note: The format of the dialstring and how to formulate the INVITE request that is sent to the Application Server hosting the supplementary service need to be defined. The actual format of each feature code for each service should be added to each specification where it is used.
* * * Next Change * * * *

4.3
Signalling requirements
4.3.1
General
Two roles are recognized for the implementation of SIP-based user configuration: 1) UE (SIP-based user configuration client); 2) Application Server.
* * * Next Change * * * *

4.3.2
Actions at the originating UE (SIP-based user configuration client)
When performing SIP-based user configuration, the UE shall create a SIP URI, as described in RFC 4967 [x], with:

a)
a dialstring, set to either the concatenation of feature code and the number to be provisioned or the feature code alone if no number information needs to be provided for the service; and,

b)
a "phone-context" parameter, set to the home network domain name.

The UE shall construct and initiate an appropriate INVITE in accordance with 3GPP TS 24.229 [3] with the Request-URI set to the URI created above.
* * * Next Change * * * *

4.3.3
Actions at the AS serving the originating UE
Upon receiving an INVITE request with Request-URI containing a SIP URI including a “phone-context” parameter equal to the home network domain name, a "user=" parameter set to value "dialstring", and a dialstring representing a feature code or a concatenation of feature code and number to be provisioned, the AS shall:

a)
accept the INVITE request following the procedures specified for AS acting as a terminating UA in 3GPP TS 24.229 [3]; and,

b)
perform service activation, deactivation, or configuration data modification based on the recognized contents of the Request-URI.

Based on the outcome of the service configuration operation, the AS may play an appropriate network announcement to notify the user of the result of the operation. 
