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**** End of First Change ***
****Second Change ***
9.3.3.4
Session Combining

The CSI AS having established on call leg to the CUA and another call leg to the MGCF shall combine the responses from the CUA and the MGCF as follows:
The CSI AS shall act as a B2BUA as per subclause 5.7.5 of 3GPP TS 24.229 [5] with the following additions.

The CSI AS shall respond to the SIP INVITE request from the originating UE when the CSI AS receives the first SDP answer from both of the two call legs toward the CUA. The SIP response code that is sent to the originating UE by the CSI AS depends on the SIP response received from the two call legs.
When the CSI AS waits for a SIP response from one of the two call legs till 64*T1 as specified in RFC 3261[17] after receiving a SIP response from the other call leg, the CSI AS shall provide the received SIP response to the originating UE and remove the media in the overtime leg.
When the CSI AS receives the SIP responses for the SIP INVITEs request that were sent to the CUA and the MGCF, the CSI AS shall:
1) provide the SIP response to the originating UE as per subclause 5.7.5 of 3GPP TS 24.229 [5]. In this SIP response except the final response, the CSI AS shall provide all SDP media description that is received from the CUA and the MGCF in the SDP answer,
2) provide the combined final SIP response to the originating UE only if the final SIP responses arrived from each of the two call legs have the same SIP status code, or
3) provide the SIP response as shown in the table below to the originating UE for the listed scenarios if the SIP resposes arrived from each of the two call legs have different status codes.
Table 9.3.3.4: response (CSI AS to the originating UE)
	scenario
	Response from MGCF
	Response from CUA
	Response provided by CSI AS to the originating UE

	Failure in CS domain (e.g because of call Barring) only
	4xx/5xx/6xx
	183(SDP Answer)
	183(SDP Answer containing non-realtime media only)

	
	
	180/200
	180/200

	Failure in IMS domain only 
	183(SDP Answer)
	4xx/5xx/6xx
	183(SDP Answer containing realtime media only )

	
	180/200
	
	180/200

	Failure in both domains
	4xx/5xx/6xx
	4xx/5xx/6xx
	4xx/5xx/6xx

	Call forwarding
	181
	183/180/200/4xx/5xx/6xx
	181 or 183/180/200/4xx/5xx/6xx

	
	183/180/200/4xx/5xx/6xx
	181
	

	Call hold
	Update
	Null
	Update(realtime media)

	
	Null
	Update
	Update(non reltime media)


Note1: For the failure in CS domain, to give the user a good experience, the CSI AS may initiate the realtime session towards the IM CN subsystem.
Note2: For the failure in both domains, the CSI AS may provide the final respose to the originating UE like the forking handling as specified in RFC 3261[17].
Note3: For the call forwarding scenario, the CSI AS provides 181(call is being forwarded) to the originating UE or may keep the successfully established CS call or/and IMS session with the calling party.
Note4: For the call hold scenario, the CSI AS provides the update to the originating UE and may initiate session modification request to perform corresponding media modification towards the originating UE.
**** End of Second Change ***
