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----------------------------------------- 2nd change ---------------------------------------------
3.3
Abbreviations

For the purposes of the present document, the abbreviations given in 3GPP TR 21.905 [1] and the following apply. An abbreviation defined in the present document takes precedence over the definition of the same abbreviation, if any, in 3GPP TR 21.905 [1].

ACR
Anonymous Communication Rejection

ATCF
Access Transfer Control Function

B2BUA
Back 2 Back User Agent

BGCF
Breakout Gateway Control Function

CAT
Customized Alerting Tone

CB
Communication Barring

CCBS
Completion of Communications to Busy Subscriber

CCNR
Communication Completion on No Reply

CDIV
Communication Diversion


CRS
Customized Ringing Signal

ECT
Explicit Communication Transfer

FA
Flexible Alerting

HOLD
Communication HOLD

CW
Communication Waiting

IBCF
Interconnection Border Control Function

ICB
Incoming Communication Barring

ICID
IMS Charging Identifier
ICS
IMS Centralized Services

I-CSCF
Interrogating CSCF

II-NNI
Inter-IMS Network to Network Interface

IM
Instant Messaging

IMS-ALG
IMS Application Level Gateway

MCID
Malicious Communication IDentification

MRFC
Media Resource Function Controller

MSRP
Message Session Relay Protocol

MWI
Message Waiting Indication

NA(P)T-PT
Network Address (Port-Multiplexing) Translation-Protocol Translation

NNI
Network to Network Interface

OCB
Outgoing Communication Barring

OIP
Originating Identification Presentation

OIR
Originating Identification Restriction

OMA
Open Mobile Alliance
OMR
Optimal Media Routeing
P-CSCF
Proxy CSCF

PNM
Personal Network Management

PRES
Presence

TIP
Terminating Identification Presentation

TIR
Terminating Identification Restriction

TrGW
Transition Gateway

SRVCC
Single Radio Voice Call Continuity

IOI
Inter Operator Identifier
IUT
Inter UE Transfer

------------------------------------------- 3rd change -----------------------------------------
12.6
Communication DIVersion (CDIV)

Service specific requirements in accordance with 3GPP TS 24.604 [117] shall be supported over the II-NNI. 

NOTE 1:
The support of the Diversion header field not adopted in 3GPP TS 24.604 requires bilateral agreement between the operators. 

Procedures as described in subclause 12.21.2 are used to provide announcements.

The Privacy header field with value "history" shall be supported at the II-NNI.

The History-Info header field as described by 3GPP TS 24.604 [117] and the Cause-Codes as defined by the IETF RFC 4458 [58] shall be supported over the II-NNI. 

NOTE 2:
The networks can have an internal limit in the number of allowed diversions, as described in 3GPP TS 24.604 [117], subclause 4.5.2.6.1. To ensure efficiency of this control operators can indicate in their bilateral agreements their own number of allowed communication diversions, a parameter that is used for counting, and the network behavior when the internal limit is reached.

The response code 181 (Call Is Being Forwarded) shall be supported at the II-NNI. 


The MESSAGE request procedure as specified in IETF RFC 3428 [19] and 3GPP TS 24.229 [5] should be supported at the roaming II-NNI if CDIVN is provided.

NOTE 3:
The content of the MESSAGE request is operator specific.

SIP based user configuration as described in 3GPP TS 24.238 [100] shall be supported at the roaming II-NNI.


---------------------------------------- End changes -------------------------------------------

