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***CHANGE***
7.5.2
Call origination procedures in the ATCF

Upon receiving the originating SIP INVITE request, the ATCF shall:

NOTE 1:
Since the ATCF acts as proxy, the dialog identifier of the SIP INVITE request is not modified by procedures of the subclause.
0)
insert Record-Route header field with own SIP URI; and

1)
if the latest SRVCC related information (as defined in subclause 6A.3.1) received for the registration which the session being established is using contains ATU-STI and C-MSISDN:
A)
associate the session being established with the C-MSISDN and the ATU-STI bound to the registration (see subclause 6A.3.1); and

B)
if the originating SIP INVITE request contains SDP offer and if decided to anchor the media according to operator policy as specified in 3GPP TS 23.237 [9], replace the SDP offer in the originating SIP INVITE request with updated SDP provided by ATGW;

NOTE 2:
ATCF interacts with ATGW to provide the needed media related information. The details of interaction between ATCF and ATGW are out of scope of this document.

before forwarding the request. 
When the ATCF receives any 1xx or 2xx response to the originating SIP INVITE request, the ATCF shall; 

1)
save the Contact header field included in the 1xx or 2xx response.
NOTE 3:
If the ATCF subsequently receives an initial INVITE request due to STN-SR, the ATCF will include the saved the Contact header field of the remote UE in its SIP 200 (OK) response to the initial INVITE request due to STN-SR as describe in subclause 12.7.2.2.
***CHANGE***
8.4.2
Call termination procedures in the ATCF

Upon receiving the terminating SIP INVITE request, the ATCF shall:

NOTE 1:
Since the ATCF acts as proxy, the dialog identifier of the SIP INVITE request is not modified by procedures of the subclause.

1)
if a Record-Route header field containing the g.3gpp.srvcc media feature tag is included in the SIP INVITE request:

A)
insert Record-Route header field with own SIP URI; and

B)
if the latest SRVCC related information (as defined in subclause 6A.3.1) received for the registration which the session being established is using contains ATU-STI and C-MSISDN:

a)
associate the session being established with the C-MSISDN and the ATU-STI bound to the registration (see subclause 6A.3.1); and

b)
if the terminating SIP INVITE request contains SDP offer and if decided to anchor the media according to operator policy as specified in 3GPP TS 23.237 [9], replace the SDP offer in the originating SIP INVITE request with updated SDP provided by ATGW; and

2)
save the Contact header field included in the terminating SIP INVITE request;
NOTE 2:
ATCF interacts with ATGW to provide the needed media related information. The details of interaction between ATCF and ATGW are out of scope of this document.
NOTE 3:
If the ATCF subsequently receives an initial INVITE request due to STN-SR, the ATCF will include the saved the Contact header field of the remote UE in its SIP 200 (OK) response to the initial INVITE request due to STN-SR as describe in subclause 12.7.2.2.
before forwarding the request.

***CHANGE***
12.7.2.2
Active session transfer

If a session being transferred is determined in subclause 12.7.2.1 and the ATGW anchors the media of the session being transferred, the ATCF shall act as B2BUA as describe in subclause 5.6 and shall:

NOTE 1:
At this point, ATCF interacts with ATGW to provide information needed in subsequent bullets. The details of interaction between ATCF and ATGW are out of scope of this document.

1)
send 200 (OK) response to the received SIP INVITE request due to STN-SR that contains: 
-
the saved Contact header field of the remote UE as describe in subclause 7.5.2; 
-
the Record-Route header field that contains only the SIP URI pointing to the ATCF; and
 -
the SDP answer that includes the ATGW ports and the IP addresses as provided by the ATGW;

2)
replace the SDP offer in the received SIP INVITE request due to STN-SR with the SDP offer containing the currently used media with ATGW ports and IP addresses towards the remote UE as provided by the ATGW;

3)
replace the Request-URI in the received SIP INVITE request due to STN-SR with the ATU-STI associated with the session being transferred; 

4)
insert Target-Dialog header field with the dialog identifier of the session being transferred; and

5)
forward the request.

NOTE 2:
Upon receiving SDP answer to the SDP offer in the forwarded INVITE request and if the ATGW anchors the media of the session being transferred, the ATCF requests the ATGW to start sending and receiving media towards the remote UE according to the SDP answer. The details of interaction between ATCF and ATGW are out of scope of this document.

If a session being transferred was determined in subclause 12.7.2.1 and the ATGW does not anchor the media of the session being transferred, the ATCF shall act as proxy and shall:

1)
replace the Request-URI in the received SIP INVITE request due to STN-SR with the ATU-STI associated with the session being transferred;

before forwarding the request.
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