Error! No text of specified style in document.
1
Error! No text of specified style in document.

3GPP TSG-CN1 Meeting #32
Tdoc N1-031561
Bangkok, Thailand,   27 – 31 October 2003
Source:
Nokia

Title:
TR 29.847: Reference to TS 22.141

Agenda item:
8.4.3 – IP Multimedia Core-Network Subsystem Conferencing 
Document for:
DISCUSSION and APPROVAL

Introduction

TS 22.141 is referenced in clause 3 and sub-clause 9.2.1.1 of TR 29.847, but not listed as a reference.

This paper adds a reference in clause 2.

The format of the last paragraph in 9.2.1.1 is changed from an editor's note to a first-level bullet. 

First Change
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Definitions, symbols and abbreviations

3.1
Definitions 

For the purposes of the present document, the following terms and definitions apply.

For the purposes of the present document, the terms and definitions defined in 3GPP TS 21.905 [1] and 3GPP TS 22.141 [18]  apply.

Conferencing AS: 
an Application Server that supports functionality specific to a SIP conference focus.

The following terms and definitions given in 3GPP TS 23.228 [2] apply (unless otherwise specified)

Public Service Identity

Three-way sessionThe following terms and definitions given in draft-ietf-sipping-conferencing-framework-00 [8] apply (unless otherwise specified)

Conference

Conference-Aware Participant

Conference Notification Service

Conference Policy

Conference Policy Control Protocol

Conference Policy Server

Conference-Unaware Participant

Conference URI

Focus

Media Policy

Media policy server

Membership Policy

Mixer

Participant

Tightly Coupled Conference

The following terms and definitions given in draft-ietf-sipping-cc-conferencing-01 [9] apply (unless otherwise specified)

Conference Factory URI

3.2
Abbreviations

For the purposes of the present document, the following abbreviations apply:

AMR
Adaptive Multi-Rate

AS
Application Server

CN
Core Network

CSCF
Call Session Control Function

CPCP
Conference Policy Control Protocol

FQDN
Fully Qualified Domain Name

HSS
Home Subscriber Server

I-CSCF
Interrogating CSCF

IM
IP Multimedia

IMS
IP Multimedia CN subsystem

IP
Internet Protocol

MGCF
Media Gateway Control Function

MRFC
Multimedia Resource Function Controller

MRFP
Multimedia Resource Function Processor

P-CSCF
Proxy CSCF

PSI
Public Service Identity

S-CSCF
Serving CSCF 

SDP
Session Description Protocol

SIP
Session Initiation Protocol

UE
User Equipment

Second Change

9.2.1.2
Authorization of a request 

Requests received by the conference focus from a conference participant can be for one of the following conference related functionalities:

a)
request for conference creation

b)
request for joining a conference;

c)
request for inviting another user to the conference; or

d)
request for subscription to the conference event state.

Depending on the requested functionality, the conference focus has to perform specific actions after the request was authorized or not. This subclause only describes the authorization of a request, the actions to be taken if the authorization succeeds are described in

a)
subclause 5.3.2.3 for conference creation;

b)
subclause 5.3.2.4 for joining a conference;

c) 
subclause 5.3.2.5 for inviting another user to a conference; or

d) 
subclause 5.3.3.1 for subscription to the conference event state.

Once the conference focus has tried to verify the identity of the conference participant (see subclause 9.2.1.1), the conference focus either has a verified identity of the conference participant or it considers the conference participant as anonymous.

If the conference participant is considered anonymous, the conference focus shall check if the policy of the conference allows an anonymous request for the requested functionality. If the conference policy allows anonymous requests for the requested functionality then the conference focus shall perform the requested functionality, otherwise it shall not.

If the conference participant is identified by an identity, the conference focus shall apply the conference authorization policy of the conference to detect whether the particular conference participant is allowed to perform the requested functionality for the specific conference. The conference authorization policy can include the verified identity as a possible conference participant. In this case the conference focus shall perform the requested functionality.

If the requested functionality is performed, the conference focus shall return a 200 (OK) response to the conference participant.

If the requested functionality cannot be performed, the conference focus shall either:

-
reject the request according to the procedures of RFC 3261 [7] and RFC 3265 [10] e.g., by issuing a 403 (Forbidden) response.

-
if the conference authorization policy dictates it, do a polite blocking (as defined in 3GPP TS 22.141 [18]) by sending a 200 (OK) response.
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